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1995 Linear Design Seminar

Linear Design Seminar Structure

The 1995 Texas Instruments Linear & Mixed Signal Design Seminar introduces over 40 new
products, including devices for battery-powered, low supply voltage and space-restricted
applications. We demonstrate how these can be used to address a range of problems and needs
experienced by today’s design engineers, illustrating the concepts and ideas by tested
application circuits.

The sections of the seminar can be related to the simple functional block diagram of a generic
electronic system encompassing “linear” (or “real-world”) inputs and outputs, whose heart is
digital processing.
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There are four sections to the seminar:

FROM SENSORS TO DIGITAL
ANALOG INTERFACE CIRCUITS
POWER SUPPLY SOLUTIONS
POWER DRIVE CIRCUITS

In the SENSORS TO DIGITAL section we look at the task of converting the analog output of a
sensor to a form that can be processed by a digital circuit, for example a microcontroller or a
digital signal processor. We consider the choice of signal conditioning components and their use
with analog-to-digital converters.

First there is discussion of the special needs of 3 volt systems which is illustrated by a precision
3v pressure sensor measurement. Next some recent 5v converters are described, and illustrated
by applications in motion control.

Lastly some recent opto sensors which simplify the task of light measurement are examined.

In the ANALOG INTERFACE CIRCUIT section we consider recent product introductions
where the task of bridging the gap between the ‘real’ analog world and the digital processor has
been realised by specific integrated components. These are particularly important where space and
cost are of great importance, and the generic application uses large volumes of product, to lower the
specific development costs.

Analog interface components may contain signal conditioning (amplification, buffering, filtering) and
conversion elements as well as appropriate interfaces to digital processing systems.

An important concern is the simplicity of interface between these analog interface components and
the digital part of the system.

Topics covered will be “voice-based audio processors”, relatively low-cost integrated components
operating up to 3-5 volts; audio interface circuits with high performance and programmability from
DSP; audio data converters; and lastly Video Interface Palettes that deliver the large amount of visual
information stored in memory to colour PC monitors.

In the section on POWER SUPPLY SOLUTIONS we are concerned with delivering a stable supply
to our analog and digital circuits and of ways to preserve the integrity of both information and
indeed the digital processor under out-of-specification external conditions (eg start-up, over-voltage,
etc).

Lastly in POWER DRIVE SOLUTIONS we consider new integrated power switches that employ the
small component feature size developed for today’s high speed digital processors and high density
memories.

In this section we are concerned with applications where significant power is dissipated, and
practical drive circuits for motors, lamp arrays and relays are described.
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From Sensors to Digital

1 Introduction

This section looks at some typical sensor to digital applications and uses them to
illustrate how sub-system components can meet the needs of today’s designers.

1.1 Sub-System Components

The appetite for totally integrated solutions to applications problems is undoubtedly
growing. As soon as the demand for a particular function or set of functions has increased
to an economically viable level, it would seem that an integrated circuit is designed to
meet the need.

However the age of the ubiquitous operational amplifier or the slightly more esoteric
data converter is far from over. It is the nature of electronics that its applications are
widely dispersed across every facet of human activity. This fact should safeguard the
future of the sub-system component for several more years yet !

It is the task of the system designer to decide what level of integration is appropriate for
the particular application problem he is attempting to solve. His decision will be
influenced by performance needs and cost constraints. Moreover, the higher performance
available with many standard sub-system components ensures that they will frequently
be preferred to more integrated solutions.

1.2 Mixed Signals

Solutions to real world problems require an ability to handle analog and digital signals
equally efficiently. The need to get analog information into the digital domain accurately
and rapidly is more important today than ever before. Despite the proliferation of
microcontrollers and digital signal processors which now include analog functions on
board, the demand for individual components which offer higher performance continues
to grow. This first section will attempt to show why this is the case.

1.3 Sensors to Digital

The key elements of a typical electronic sensor system are shown in figure 1.1. The
transducer provides a convenient analogy of the physical phenomenon to be measured.
This analogy may be in any one of a number of forms including current, voltage.
resistance or capacitance for example.

1.5



1995 Linear Design Seminar

TRANSDUCER

Sensors to Digital

Real World Ph

Temperature
Pressure
Woeight
Volume
Position
Speed
Acceleration
Energy
Frequency
Sound

Light

etc....

using :-

LV.R C,L,

ANALOG
SIGNAL TO MICROCONTROLLER
CONDITIONING DIGITAL OR
CONVERSION DsP

Fi Performed Types of Converter Functions Performed

Gain (Scaling) Integrating Gain (Scaling)

Filtering VioF Filtering

Linearisation Sigma-Delta Linearisation

integration Successive- Integration

Differentiation
Peak Detection

using :-

Op Amps
Comparators
Vrefs
R's,Cs, Ls
Diodes

Approximation
1/2 Flash
Flash

with or without :~
Vref

SHA
Mux

Ditferentiation
Peak Detection

+

Data Logging
Data Sorting
Averaging
Communications
(Managemaent)
elc.

It is the role of the signal conditioning to modify the form of the signal to make it
convenient for the analog-to-digital converter (ADC) to handle and produce an accurate
conversion. Gain, filtering, linearisation, integration and differentiation are examples of
the transfer functions which can be applied to the signal in order to provide the ADC
with a useful analog input. The most common active component found in signal

conditioning stages is the operational amplifier.

Figure 1.1 - Key Elements of a Sensor-to-Digital System
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Technology Overview

Op Amps use three main technologies :-

CMOS

BiFET Op Amps CMOS OP Amps
TLE2061/2/4 LowBias \ 1 Singie Supply TLC2201/2
TLE2071/2/4 unents Operation TLC2252/4
TLE2081/2/4 Large Slew Fates Low Noise TLC2262/4
TLE2161 Currents Micropower | | Cpp72/4
TLE2662/82 e Operation TLV2252/4

ow Power TLV2262/4
Variants Rail-Rail TLV2322/4
wide Stabie Offeet Outputs TLV2332/4
al sel
Bandwidth Vollages TLV2341/2/4

—

Bipolar Op Amps

Very Low Noise Voltage

TLE2021/2/4 Low Offset Vollage
TLE2027/37 High Voltage Gain
TLE2141/2/4 .
TLE2227/37 Bipolar
TLV2362

Figure 1.2 - Op Amp Technology Overview

Figure 1.2 shows the three main technologies which are used to fabricate op amps. The
bipolar process was the first to be used to manufacture monolithic op amps. The basic
process has undergone some refinements since the early 1960s. For example transistors
have got faster (higher f) and process noise levels have improved. However the bipolar
process has now been used very effectively for in excess of two decades and is still the
most effective process for a number of op amp types. It offers a mix of low noise, wide
bandwidth and high gain. The BiFET process includes JFET transistors with the
standard bipolar process. This offers the benefit of higher input impedances and lower
bias currents.

CMOS offers several useful features including low power consumption, single supply
operation and rail-to-rail outputs.
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2 3-Volt Supply Considerations

2.1 Technology Trends

Much of the world's electronic systems presently operate off 5-Volt supplies. This is
because of the significant historic influence of logic families such as 74 series TTL which
run off 5 volts and their large usage by the computer industry.

The growing demand for more features and performance in portable electronic equipment
has forced manufacturers of integrated circuits to produce whole new families of devices
to meet the need. The common feature of these devices is that they will operate for a
longer period of time from the same amount of battery power. Alternatively they will
operate for the same amount of time from a smaller battery. Both results offer attractive
benefits to manufacturers of portable equipment. There are various ways of achieving
this capability.

The most popular method amongst IC manufacturers is to reduce the operating voltage of
the devices. This has the effect of reducing the power consumption in direct proportion to
the reduction in supply voltage. To maximise the benefit to end users (and thus their
adoption) of the new IC product families a concensus was needed on the choice of lower
supply voltage. 3 volts has been chosen as offering a sufficiently high saving in power
without compromising the performance of the products too much. It is also compatible
with popular low voltage battery cells.

1.9
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3.3-\Volt Supply Logic Famiilies

LOGIC FAMILY ICC (nA) PROCESS EQUIVALENT PERFORMANCE
type/microns LOGIC FAMILY @ 5-V SUPPLY

* SN74LV 20 CMOSs/2.0 HCMOS

* SN74LVC 20 CMOS/0.8 FACT, ACL, F

* SN74ALVC 20 CMOS/0.6 FCT...E Series (IDT)

* SN74LVT 2000 BiCMOS/0.8 ABT

* OPERATING SUPPLY VOLTAGE RANGE : 2.7 - 3.6 \olfs

Figure 1.3 - 3.3-Volt Supply Logic Families

2.2 3.3-Volt Supply Logic Families

The trend towards designing systems using 3-volt supplies has been boosted by the
availability of new logic families such as those shown in figure 1.3 which operate off
3 volts. As is indicated, the performance of these new families is equivalent to that of
existing 5-Volt series devices. Other benefits accrue from using 3-Volt supplies besides
power consumption. Noise generated by current spikes is reduced significantly from
those occuring with 5-Volt supplies.
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3.3-Volt Supply DRAMs

SMALLER GEOMETRY PROCESSES ( < 0.6 microns)

ADVANTAGES :- DISADVANTAGE :-
Denser IC Structures Lower Breakdown Voltage
Smaller IC Area/Mbit
Higher Yieids (Requires Lower Supply Voltage)

Lower Costs
Higher Speed/Power Rati‘(/

256 MBits

64 MBits DRAMSs Use 3.3 Voll Supplies ‘I

Figure 1.4 - 3.3-Volt Supply DRAMS

2.3 3.3-Volt Supply DRAMs

The trend towards memories operating off lower supply voltages has been driven as
much by technological expediency as by customer demand. To achieve higher memory
capacity denser IC processes have been required. These utilise smaller minimum device
geometries which, in turn, can withstand lower breakdown voltages. Furthermore the
problem of power dissipation becomes significant when dealing with 64-Mbit DRAMs or
larger memories. One way to alleviate the problem is to reduce the supply voltage. The
speed/power ratio of each memory cell is increased significantly for memories designed to
operate off a 3.3-Volt supply.

The availability of 64-Mbit DRAMS operating off 3.3-Volt supplies is further enhancing
the demand by end-equipment manufacturers for other supply compatible ICs. Amongst
these are linear components such as operational amplifiers and analog-to-digital
converters.
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Signal Conditioning Constraints

) e et
Maximum
Signal Level
Vit Makimam Dyramic” T T T T T T T TR T
Range (5V Supply)
Maximum Dynamic
Range (3V Supply)
T Y
otallnput |- .. _ . .Y ... —
Errors
Vo | Vo e | 1, |rsrr [cMRR | Gain Eror

Input Referred Errors

Figure 1.5 - Signal Conditioning Constraints

2.4 Signal Conditioning Censtraints

The high noise immunity of digital signals is one of its great advantages over analog
signals. This fact helps to prevent the performance of logic families and DRAMS from
being greatly affected by a reduction in supply voltage to 3.3 volts.

However, devices such as op amps and ADCs which contain linear functions are much
more susceptible to the effects of noise. A reduction in their supply voltage will reduce
the dynamic range of the signals which they can handle and will ultimately limit the
performance which they can achieve. Figure 1.5 illustrates how the dynamic range of a
typical linear component will be reduced by operating the device off a 3-Volt supply
instead of 5 volts. This caused simply by the reduction in maximum signal swing which is
possible at 3 volts.

It is important, therefore, that as much of the reduced supply range as possible is
available for useful signal swing. This is achieved by using products such as rail-to-rail
output operational amplifiers.

1.12
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Advanced LinCMOS™
Rail-to-Rail Output Op Amps

DEVICE SUPPLY (V) VOH (Min) VIO (max) GBW Dual / Quad
(Rated)  (Min) IOUT = 20 A mv (MHz)

LC2252 +5 44 4.98 1.5 0.2 Dual
TLC2254 +5 4.4 4.98 1.5 0.2 Quad
TLC2262 +5 44 4.99 1.5 0.8 Dudal
TLC2264 +5 44 4.99 1.5 0.8 Quad
TLC2272 +5 44 499 1.5 2.1 Dual
TLC2274 +5 44 4.99 1.5 2.1 Quad
TLV2252 +3 27 2.98 1.5 0.18 Dudl
TLV2254 +3 27 2.98 1.5 0.18 Quad
TLV2262 +3 27 2.99 1.5 0.7 Dual
TLV2264 +3 27 2.99 1.5 0.7 Quad

Figure 1.6 - Advanced LinCMOS™ Rail-to-Rail Output Op Amps

Texas Instruments manufactures a growing number of rail-to-rail output operational
amplifiers, illustrated in figure 1.6, some of which are specified to operate off 3.3-volt
supplies. Note that the performance of these low voltage devices is specified at a single

3.3-Volt supply. However they will operate with a supply voltage of between 2.7 volts and
3.6 volts.

1.13
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3 3-Volt Supply Sensor Systems

3.1 Introduction

Powering transducer electronics off 3-Volt supplies is beneficial in a number of
significant applications ranging from portable parametric test equipment to remote
telemetry systems. However it is desirable to match the performance of the sensor with
that of the sensor-to-digital electronics. This can be a challenge when operating the
system off only 3 volts. This sub-section of the seminar looks in particular at pressure
sensors, their applications and how to implement a portable pressure sensing system
running off a single 3-Volt supply.

3.2 Pressure Sensor Applications

Pressure Sensor Applications

APPLICATION RESOLUTION (bits)
AUOMOtIVE ..o 6-7

Industrial Contro! ..o 8-10

Pressurised Telephone Lines ................ 8-10

Gas Pipe Line Monitors ........
Portable Pressure Meters .
Medical Equipment .......
Meteorology ....oooeveemevireie e 12-16

Figure 1.7 - Pressure Sensor Applications
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As can be seen in figure 1.7 pressure sensors are used in a wide range of applications
requiring various resolutions between 6 and 16 bits. Industrial applications such as
process control and portable pressure meters often require 8 to 10 bits of resolution with
up to 9 bits of absolute accuracy.

The most popular type of pressure sensor is the silicon variety which is used in many of
the applications mentioned in figure 1.7.

Semiconductor Pressure Sensors
Internal Construction

PRESSURE MEDIA
J\/l’ SILICON SILICON
CIRCUITRY / CIRCUITRY
< 1mm j <1 ml’ﬁ J

/N /N
2 N N A

PRESSURE MEDIA

a.) b.)

Figure 1.8 - Semiconductor Pressure Sensors - Internal Construction

Figure 1.8 shows a cross section of the internal construction of a silicon type pressure
sensor. The pressure transducer is formed by a resistive bridge which is fabricated on the
top surface of a piece of silicon. The resistors may be thin film or diffused types. The
underside is etched or micro-machined to form a thin layer of silicon beneath the bridge.
This layer, which is frequently less than 1 mm thick, is deformed slightly when subjected
to a change in pressure. This causes a change in the stress pattern on the silicon surface
which in turn causes a change in the relative resistance of the arms of the bridge. This
produces a change in the output voltage of the bridge. To increase the sensitivity of the
sensor the layer of silicon underneath the bridge is made thinner.

The IC is then mounted on a second piece of silicon. This supports the bridge assembly
and allows metal fixings and couplings to be attached. It also helps to absorb stress which
may be caused by differences in coefficients of thermal expansion between the metal
couplings and the silicon.

When in use, the sensor can be deployed with the upper surface in contact with the fluid
or gas to be measured. This has the disadvantage that the bridge circuitry and its metal
contacts can be adversely affected by various substances in the pressure medium.

1.16
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Alternatively the gas or fluid can be in contact with the underside of the IC. This avoids
contamination of the bridge by elements in the pressure medium. The bridge will now be
deformed in the opposite direction so the output from the bridge will be in the reverse
sense of that produced by pressure acting on the upper surface.

Silicon Pressure Sensor
Typical Performance Characteristics

Sensitivity ......cccoveviii 3.0 mV/V/psi
Full scale Span . .. 75 mV

Tempco of Span ... .. -2300 ppm/deg C
Zero Pressure Offset -20 mV

Tempco of Offset ..... o+ 4 nV/Videg. C
Output Impedance.............cccoeveuenne. 465 kohms
Tempco of Resistance ........... + 750 ppm/deg. C
Response Time (10% to 90) %............. 0.1 ms

Note: Characteristics Shown abplyAio -
Sensym SX05 Pressure Sensor

Figure 1.9 - Silicon Pressure Sensor - Typical Performance Characteristics

The typical performance characteristics of a silicon pressure sensor (Sensym SX05) are
shown in figure 1.9. It can be seen that the effects of temperature on span and offset is
significant. It is therefore necessary to calibrate the pressure measurement system
electronics to compensate for these effects.
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TLV2262 Dual 3V Supply Op Amp
Vio Temperature Coefficient Distribution

25

20

Percentage of Amplifiers - %

o |1
5 4 3 2 4 0 1 2 3 4 &

«Vio - Temperature Coefficient - uV/deg.C

Figure 1.10 - TLV2262 Vio Temperature Coefficient Distribution

The size of the offset of the pressure sensor is large compared to the input offset voltage
(Vio) of non-precision operational amplifiers such as the TLV2262. Furthermore the
temperature coefficient of Vio of the TLV2262 is typically less than 4 uV/°C, as shown in
the histogram of figure 1.10, which is one third of the offset temperature coefficient of the
pressure sensor when excited by a +3-Volt power supply. This is because the temperature
coefficient of offset of the pressure sensor is 4 uV per volt of excitation per degree
Centigrade which equates to 12 pV/ °C for 3-Volt supply.

It is therefore attractive to compensate for the offset and offset temperature coefficients
of both pressure sensor and operational amplifier at the same time.

1.18
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TLV2262 3-V Supply Dual Op Amp

Features

Input Offset Voltage VIO .....cccoovrviiviiicii 0.3V (lyp) 2.5V (max)

Input Offset Voltage Tempco ............cccccevnnee. 2 nV/°C (typ)

Input Bias Current .........c..c.coocvviviieirie e, 1 pA (typ) 150 pA (max)

High Level Output Voltage (lout - 100 pA) ........ 2.85 V (min)

Low Level Output Voltage (lout - 500 pA) ......... 0.15V (max)

Supply Current - IDD ......ccoovevniiniiiis 500 pA (max)

Input Noise VoItage .........ccoeereeeriiennieen e, 43 nVNHz (typ) @ f= 10 Hz
12 nV/Hz (typ) @ f= 1 kHz

Input Noise Curment ........ccccoeeeviiiieiiiiiiii e 0.6 IA/NHz (typ)

Gain-Bandwidth Product ..o, 670 kHz (typ)

Figure 1.11 - TLV2262 3-Volt Supply Dual Op Amp

The TLV2262 offers several features which are attractive in portable pressure sensor
applications. Some of these features are shown in figure 1.11. They include rail-to-rail
output signal swing with useful output currents in excess of 100 pA available across the
output voltage range.

The typical input noise voltage of the TLV2262 at 10 Hz is 43 nVA Hz. Over 100 Hz
bandwidth this produces an average effect of less than 1 uVrms which is a small fraction
of a least significant bit (LSB) at 10-bits of resolution.

The typical input noise current of the TLV2262 is 0.6 fA/N Hz. This yields relatively
insignificant noise voltages even when flowing through circuit impedances of the order of
1MQ!
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TLV1543 3.3-\Volt Supply 10-bit Serial ADC

Features
3.3 Voit Supply Operation
On-chip sample-hold
Serial Data Output
SPI Compatible
10-bit Resolution (+ /- 1 LSB TUE)
11 Analog Input Channels
Three built-in Self Test Modes
On-chip System Clock
End of Conversion (EOC) Output

21 uS Conversion Time

Figure 1.12 - TLV1543 3.3-Volt Supply 10-bit Serial ADC

The TLV1543 is a 10-bit serial data output analog-to-digital converter which operates
with a 3-Volt supply. Its multiple-input-channel architecture makes it particularly
suitable for use in auto calibrated sensing applications. One input channel can be used to
convert the amplified sensor signal while another channel can convert a temperature
signal.

Both the TLV2262 operational amplifier and the TLV1543 10-bit ADC are used in the
calibrated pressure sensor system design which follows.

1.20
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3.3 A Fully Calibrated Pressure Measuring System

3.3.1 System Overview

This application demonstrates how a fully calibrated portable pressure measuring system
running off a single +3-V supply can be built. The system offers 10-bit resolution and 9-
bit accuracy.

The pressure sensor (type: Sensym SX05) which was used is based on the piezoresistive
effect. It consists of four silicon resistors, which are electrically connected to form a
Wheatstone bridge. The excitation voltage is connected across one of the two diagonal
junctions of the bridge. The pressure signal is extracted as the differential voltage
between the other two diagonals. This signal is amplified by a differential amplifier
which consists of the TLV2262 and four resistors as shown in figure 1.13.

Pressure Sensor - Measurement Circuit

+ Vee

f ISOTHERMAL AREA
[E Ry
H 0
' i
1 , Ct '
PR\ y :
' + Vee .
1 Pressure vi B _\I\ v ,
: sensor 0 -
; NP4 ve T i ?I%“Z' “C
: I T2 TIve262 | nlerface

+ : ; TLV1543
= + Vee R4 |

1/2 TLV2262

Pressure sensor: Sensym SX05 or similar

R3= R4 = 470kQ Vo = (Vz-v1)'53— for R
R1= R2= 10kQ R2 R]1
Ror = 500 kQ (Offset Trimming)

C1= 50pF

I

Figure 1.13 - Pressure Sensor - Measurement Circuit

The gain of the amplifier is chosen to scale the signal so that the output voltage of the
operational amplifier, and thus the input to the following ADC, is around 2.5 Volts, at
maximum input pressure for the SX05 type sensor. The measuring system runs off a
single 3-V supply. To compensate for negative pressure transducer offsets it is necessary
to connect a trimming potentiometer, P1, across the output of the sensor with the wiper
routed directly to the negative rail as shown in figure 1.13. The ouput signal of the
operational amplifier is directly connected to the TLV1543 10-bit serial output ADC. The
operation of the ADC is controlled by a microcontroller. The measuring scheme was
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implemented first using the TMS7000 microcontroller followed by the M68B11. These
were chosen because they both operate from a 3-V single supply.

3.3.2 Derivation of System Formula

The system exhibits two significant error effects which must be compensated for each
time a pressure measurement is made. These errors, which vary with temperature, are
system offset and system gain (otherwise known as slope). The pressure sensor and
amplifier combination is treated as a "black box". This has two advantages. It simplifies
the necessary calibration routine and also allows the offsets and gain errors of a non-
precision amplifier to be lumped in with those of the pressure sensor.

The total circuit yields a family of temperature dependent linear characteristics as shown
in figure 1.14.

Family of Pressure Measurement Characteristics

02 < @max 02> 61

P P = {(D-O/P, Temperature (8))
(Pressure - psi)

I S S 91> Omin

S(8) = Slope of characteristic
{function of temperature)

0O(0) = System Offsel
(function of temperature)

Omin = Minimum temp spec
of system

[T

Omax = Maximum temp spec
of system

f
'
'
i
.
d
‘
‘
i

2 L

0 D(P1,62) D(P1,01)D(P2,02) D(P2,01)

0(e1) ADC O/P (bits)

0(82)

Figure 1.14 - Family of Pressure Measurement Charateristics
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Derivation of the system-formula:

Function of the linear characteristic: P = D*S(0)+ O(6) [1]
Slope as a function of the temperature: S(8) = S(0°C)+ 0," TK, [2]
Offset as a function of the temperature: 0(8) = O(0°C)+ 6," TK, (3]

with 0, = ambient temperature

Therefore:

System formula: P = D*(S(0°C) + 0,* TK) + O(0°C) + 6, TK, [4]

TK; - Tempco of Slope
TK, - Tempco of Offset

Figure 1.15 - Derivation of the system formula

The circuit shown in figure 1.13 allows the system offset and gain errors to be
automatically compensated for. The effects of offset and gain changes due to temperature
on the pressure measurement can be described by the following system formula :-

P = D ((S(0°C) + 8, TK )+ 0(0°C) + 6, TK,
where -
P = Actual Pressure (psi)
D = ADC Output
0(0°C) = Offset of system at 0°C
[¢IC)) = Offset, of system at 6°C
S(0°) = Slope of system at 0°C
S(6) = Slope of system at 6°C
0, = Ambient Temperature
TK, = System Offset Temperature Coefficient
TK, = System Slope Temperature Coefficient
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Dependency of System Slope on Temperature

Linearity = + /- 0.14% (Effect On Overall Result < 2 LSB)

S
Slope
{Apsi/AD-Values) »
-~

§@) | omemmm o S(6)) = S(0°C) + 6, TK,

S(0°C) = S(6,) + 6,"TK,

S (0°C)

I

0

{Ambient temperature (°C))

Figure 1.16 - Dependency of Slope (Gain) on Temperature

This system fomula is derived by substituting equations 2) and 3) in equation 1). Other
calibration formulae are shown in equations 5) through 12).

3.3.3 System Calibration

The slope and offset temperature coefficients of the system were measured during the
installation. Accurate and stable pressure and temperature measuring equipment is
required to perform this task. Several points on the P (pressure) versus D (ADC output)
function were measured at a fixed temperature to prove the linearity of the function.
These temperature coefficients were then used by the microcontroller in conjunction with
the measured pressure and temperature to calculate the true pressure in psi using the
system formula.
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Dependency of System Offset on Temperature

Linearity = + /- 0.5% (Effect On Overall Resull < 1/2 LSB)
o
(1 Ofiset] )
psi
1O@) fmmmmmmmmm oo - 0(8,) = O(0°C) + 6, TK,
O(0°C) = O(8,) - 8,' TK,

10 (°C)i

F=-3 P . ¥

N

0

(Ambient temperature (°C)}

Figure 1.17 - Dependency of Offset on Temperature

Figure 1.17 shows the dependency of the offset of the system on temperature.
Measurements indicated that the dependency was quite linear.
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Calibration Formulas

P2-P1
Slope, S(61), of the characteristic, P = f(D-Value,01): S(01) = {51
D(P2,01) - D(P1,61)

Slope, S(62), of the characteristic, P = f(D-Value,082): 5(02) = P2-P1 6]

D(P2,62) - D(P1,62)

Temperature-coefficient, TK;, of the slope: S(02) - S(01)

T, =
02 - 01

(7}

Slope, S, at 0°C : S(0°C) = S(02) - TK, (8]

Figure 1.18 - Calibration Formulas

The temperature coefficient of the slope (or system gain) is derived using calibration
formulas 5) through 8) shown in figure 1.18.
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Calibration Formulas

Ofiset, O(81), of the characteristic, P = KD-Value,81): O(81) = P2-D(P2,61)* S(61) [9]
Offset, O(62), of the characteristic, P = f(D-Value,02): 0(82) = P2 - D(P2,62)* S(62) [10]

Temperature-coefficient, TK,, of the offset: 0(02) - O(01)

TK, =
Ko 02 - 01

(1]

Offset, O, at 0°C: O(0°C) = O(02) - TK, {12]

Figure 1.19 - Calibration Formulas (continued)

The temperature coefficient of the system offset is derived using the calibration formulas
9) through 12) shown in figure 1.19.

The temperature coefficients of offset and slope are then used in the system formula to
calculate the actual pressure acting on the sensor.

3.3.4 Temperature Sensor Linearisation

The circuit for temperature measurement is shown in figure 1.20. It consists of a series
connected silicon-planar temperature sensor and linearisation resistor. The value of the
linearisation resistor, R,, can be derived with the following equation :-

R, = R, R+R)-2RR,
R, +R,-2R,
where R, = sensor resistance value at minimum temperature point
R, = sensor resistance value at maximum temperature point
R, = sensor resistance at midpoint of temperature span

1.27




1995 Linear Design Seminar

The signal which is taken from the temperature sensor is buffered by the other half of
the TLV2262 dual operational amplifier prior to applying it to one of the other unused
input channels of the ADC.

Temperature Sensor Linearization

+Vcec = 3V -
R, = silicon-planar-temperature-sensor

Type: KTY 81-150 (Philips)

R.= linearization resistor with the value for
the temperature range from 0°C to 80°C:

* Achieves + /- 0.15°C Linearity

Effect on non-linearity < 1/2 LSB

Va = R * Ve RL = RM(R1+ R2) - 2RiIR2
R+ R R1+ R2-2RM

Figure 1.20 - Temperature Sensor Linearisation
The linearisation resistor achieves a linearity of +/- 0.15°C. This is well within the error
band needed to calibrate the system to 10-bit resolution.

The sensor interface system was designed to interface to two microcontroller
architectures. The TMS7000 and the MC68B11 were chosen because they both operate
with a 3-Volt supply.
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TLV1543 to TMS7000 Interface

Vec= 3.3V
. by
[ 1
pressure 1 ——— 3l a9 Ve© Vee
temperature 1 ——————j A1 TLV1543 TMS70C42
pressure 2 ——————»{ a2 REF +
temperature 2 ~———————{ A3
| N /O CLOCK |+ Pot A2
—————————
1
! sl a5 DATAINPUT Port A.3
H e Y} DATA OUT Port A0
1 —
! A7 cs Port A1
' ————— A8
1
' —_— a9 REF -
1
1 _J A10 GND Vss

Figure 1.21 - TLV1543 to TMS7000 Interface

The TMS70C42 version of the TMS7000 family of microcontrollers was interfaced to the
TLV1543 10-bit ADC using the first four bits of Port A 1/0 port as shown in figure 1.21.

ADC channel selection data is sent serially to the ADC via Port A.3 (bit3 of Port A).
Conversion results are received, via another serial link from the ADC, at Port A.0 of the
microcontroller.
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TLV1543 to MC68B11 Interface

Vec = 33V
. 3
{ T
pressure 1 ————— sl ag  ¥°° Vee
temperature 1 ——— a7 1LV 1943 MC68B11E9
Pressure 2 ——————s{ A2 REF +
temperature 2 ————! A3
) /0 CLOCK SCK/PDA4
, —{ a4
' J a5 DATAINPUT MOSI/PD3
1
' — A DATAOUT MISO/PD2
1] p— p—
' — A7 CS |4— SS/PD5
]
) 31 AB
: —_— sl REF -
1
1 ——————> A10  GND Vss

—

Figure 1.22 - TLV1543 to MC68B11 Interface

Figure 1.22 illustrates the interface of the TLV1543 to the MC68HC11 microcontroller.
This uses the Serial Peripheral Interface (SPI) of the microcontroller to transmit and
receive serial data to and from the ADC.
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4 5-Volt Supply Sensor Systems

4.1 Introduction

The most popular power supply level in present electronic systems is 5 volts. this is
largely influenced by the fact that the broadest available range of digital functions
operates from a single 5-Volt supply. In the past, many analog functions such as
operational amplifiers and ADCs have been designed to operate off +/- 15-Volt supplies.
Recently , however, the majority of new linear ICs have been designed to operate from a
single +5-Volt supply or dual +/- 5-volt supplies. The performance of these new designs
has equalled and in many cases surpassed that of the older +/ 15-Volt supply products.

We now look at how these products are influencing the design of 5-Volt supply sensor
systems.

Driving the I/P of a Switched Capacitor ADC

® Driving source needs to charge C1 to within 1/2 LSB during sampling time
® Time to charge to 1/2 LSB = TC x In(2 x resolution)

® ~ 7.6 xTC fora 10-bit converter, or 9 x TC for a 12-bit converter

ADC |/P EQUIVALENT CCT.

DRIVING SOURCE
| | I
Rs R1
1K (Max)
J— )
90pF (Max)

Time constant (TC) = (Rs + A1) x C1

Figure 1.23 - Driving the Input of a Switched Capacitor ADC
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4.2 Switched Capacitor ADCs

The versatility and ow power consumption of switched capacitor type successive approiximation
ADCs make them suitable for a wide range of 5-volt supply sensor interface applications. Itis
important o take care when driving the analog input to these ADCs to ensure that the source
impedance is low enough to be able to charge the input capacitance of the ADC to within 1/2 LSB of
the final input value during the sampling time available. Figure 1.23 indicates that the time taken to
charge the sampling capacitor to within 1/2 LSB of the analog input voltage level is 9x(TC) where
TC is the time constant of the combination of the source resistance in series with the ADCinput
resistance and the input sampling capacitor of the ADC.

TLC2543 - 12 bit, 66 kSPS Sampling ADC

FEATURES

L4 Single 5-V Supply

®  12-bit resolution ADC

®  66-kSPS sampling rate

o 11 analog input channels

®  Integrated Sample/Hold
Low supply current - 1 mA (typ)
®  Power-down mode - 4 uA (typ)
®  SPIcompatible serial interface

L Serially Programmable Operation Modes

Figure 1.24 - TLC2543 - 12-bit, 66-kSPS Sampling ADC

The TLC2543 is an example of a 12-bit resolution switched capacitor, successive
approximation ADC which operates off a single +5-Volt supply. The principal features of
the TLC2543 are shown in figure 1.24. The low operating current (1 mA) and power-down
facility make this ADC suitable for portable sensor interface systems.
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TLC2543 - Functional Block Diagram

p AN INPUT DATA
x ADDRESS NPUT
AINIO 2 REGISTER
E AIN2O 5 CONTROL < 1/0 CLOCK
a AIN3O—] & LOGIC
2] ano— 2 \
81 Anso—{ 8
% AING g SAMPLE 12-8IT OUPUT PARALLEL SERIAL
AIN7TO—] % i1 AND ADC DATA TO SERIAL P DATA
AINGO— 2 HOLD REGISTER|  |CONVERTER | oyt
AINSO— g
ANI0O—| 5
hs
»coc
3
SELF-TEST
REFERENCE

Figure 1.25 - TLC2543 - Functional Block Diagram

The internal architecture of the TLC2543 is shown in figure 1.25. The device includes a
14-channel input multiplexer, four channels of which are used by self-test modes. These
modes allow the ADC to monitor the Vref+, Vref- and (Vref+ - Vref-)/2 values. These can
be used as system checks. The input multiplexer is followed by an on-board sample/hold
stage. The information held on the sample/hold is then passed to a switched capacitor
successive approximation ADC core. On completion of the conversion an end of
conversion (EOC) signal is output and the result is then transformed from parallel into
serial data mode to be output at the DATA OUT pin. The ADC can be programmed to
deliver the result in one of several data formats including MSB first and LSB first.
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SPI Internal Structure and Data Flow

TLC2543 TMS370C010

SPI MASTER (MASTER/SLAVE = 1)

DATA OUT Som

SERIAL INPUT BUFFER
(SPIBUF)

T+

SIMO SHIFT REGISTER
(SPIDAT)

DATA INPUT 14

msB LsB

/O CLOCK |« SPICLK

Figure 1.26 - SPI Internal Structure and Data Flow

When using the TLC2543 in sensor applications it is usual to control the mode of
operation and the flow of conversion data using a microcontroller. Several methods of
serial interface between microcontroller and TLC2543 are possible. However the most
efficient is probably one which uses the SPI (Serial Peripheral Interface).
Microcontrollers which include the SPI interface include the TMS370C10 and the
MC68HC11.

The function of the SPI is illustrated in figure 1.26. It consists of an 8-bit serial shift
register which is initially loaded by software with the mode-control data to be sent to the
ADC input. The SPI transfer is then initiated by software. This automatically starts the
output of serial data from the SIMO (Slave In Master Out) pin of the microcontroller. At
the same time data from the previous conversion result is received at the SOMI (Slave
Out Master In) pin of the microcontroller. This data is shifted into the other end of the
serial shift register. On completion of an 8 bit SPI transfer the new contents of the shift
register is automatically loaded into a serial input buffer ready to be read by the next
software instruction in the routine.
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TLC2543 to TMS320C25 Interface Circuit

TMS320C25
A15:0

1S

D7:0

DX
DR

XF
CLKR
CLKX

FSX
FSR

l 74AL3138
A

B Y7

C Y6

iGes Y5
/G2A
TLC2543
DATAIN
DATAQUT
:} {>o 1O CLK

Lo

e

74ALS373
oC

1D 1Q
2D 2Q
3D 3Q
4D 4Q
5D 5Q
60D 6Q
7D 7Q
8D 8Q

l+—0
le-—0 \
t¢—0 /
[+—0
l«—0
] \
|—0
[«—0 /

ADC Mode

ADC Channel

jol]

Figure 1.27 - TLC2543 to TMS320C25 Interface Circuit

Many 5-Volt sensor systems are now used in high speed closed loop control systems
which rely upon the high computation speed of Digital Signal Processors to achieve their

precision and stability.

It is important, therefore, to be able to transfer the conversion results from the ADC of
the sensor electronics rapidly to the DSP. The interface shown in figure 1.27 can be used

to achieve this transfer.
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Digital Motor Control - System Overview

Incremental

1

3-phase AC motor

Mains A“C :
AC © | {:I‘>
DC '

©o0— '

— | =

V]

GEAR
_‘j BOX
Channel 1 Torsional Play
Channel 2 Sprin
. |Chaneid
120t {&homeid
ADCs |Chawel5 creme
| Channel 6
7 2
Chonnel 9

Figure 1.28 - Digital Motor Control - System Querview

An example of a closed loop control system which relies upon the rapid transfer of data
from ADCs to the DSP is Digital Motor Control which is shown in figure 1.28. This
method of motor control is used to accurately control the position of the rotor of
asynchronous electric motors. This is achieved by sensing the instantaneous phase
currents of the the stator windings using Hall sensors or similar techniques. These
currents, in turn, indicate the instaneous magnetic fields which are present in the rotor
windings. Knowledge of the direction and relative magnitude of these magnetic fields
plus the instantaneous angular position of the rotor is sufficient to control the position of
the rotor to the accuracy available from the position sensor.

The drive to each phase of the stator windings is provided by a pulse-width-modulated
(PWM) synthesised sine wave. This PWM drive, which is provided by the DSP, closes the
loop of the control system.
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Mechanism of Optical Encoder

Light-receiving

P T
A )\/I <F B

Countingonly4 and v edgeof A: 2x
Counting * and + edgeof Aand B: 4x

Slit
diodes
\\ ’ / "/
// B \_
=
<
S
\
\\
ny
Resolution :-
Counting only A : 1x

‘>—° Output
T

Comparator

Figure 1.29 - Mechanism of Optical Encoder

A typical position sensor uses an optical encoder, the basic operation of which is shown in
figure 1.29. The encoder consists of the wheel containing a number equally spaced slits
positioned near its rim. The number of slits determines the coarse positional resolution of
the system. Two light sensitive diodes or transistors are situated one side of the encoder
wheel while a light emitting diode is positioned on the other side. The wheel is fixed to

the shaft of the motor. As it rotates the quantity of light received by each diode
modulated as shown. The amplitudes of the light at A and B are converted into voltages

is

and compared at a comparator. The output of this comparator yields higher positional
resolution than the basic slit spacing as shon in figure 1.29.
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Enhanced Decoding Technique

Track A N\ IR
Counter |,
Track B \/ \/ Iy
Microcontroller
- TLC2543 +
Enhanced Resolution | DspP
S/H h—bLADC l
Enhanced Res. = Inc. x 4 x 2 "% °F4%9 Trigger o ;
Example : —l
512 Increments (Slits) / revolution S ADC
8 bit ADC
TLC2543
Enhanced Resolution = 512 x 4 x 2°
= 524,288 Inc/rev
= 686.6x 10° deg

Figure 1.30 - Enhanced Decoding Technique

Enhanced decoding techniques exist which allow much high resolutions to be achieved
from the optical encoder system previously described. Figure 1.30 shows such a decoding
technique. This relies on measuring the instantaneous values of both track A and track B
light receivers. The voltage levels of each track are converted into digital form and the
results are fed into the DSP. Their relative magnitudes are used to compute the
instantaneous position of the rotor to very high accuracies. For example a pair of 8-bit
ADCs can be used to produce a positional resolution of 686.6 x 10° degrees. A pair of 12-
bit ADCs will yield 16 times higher resolution.

These levels of performance may seem beyond the needs of normal requirements.
However these very high angular resolutions become essential in applications such as
robot arms where the radius of the rotation is long and the lateral translation produced
by even minute fractions of a degree can be significant. This is particularly true in
applications such as the assembly of automotive components where positioning to
interference fit tolerances is commonplace.
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DMC - Control Block Diagram

by b4

Ch1 Ch2 Ch3 Chd4 Ch5 Ché Ch7 Chs
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Track A
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Track B
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Track A

Ch 8: Position Encoder 1
Track B
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Figure 1.31 - DMC - Control Block Diagram

The overall control block diagram of a typical Digital Motor Control system is shown in
figure 1-31. The two incremental optical encoders, one positioned at either end of the
rotating plant , allow the control system to take account for torsional stres in the shaft
and any play in the gearings and couplings which may be present in the system.

Eight ADCs are typically required to provide sufficient data to the DSP to control the
rotor position. These include three ADCs to monitor phase currents, four ADCs to
implement the enhanced position decoding and one to monitor the DC voltage from which
the PWM sine waves are synthesised.
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5 5-Volt Supply Data Converters

5.1 Introduction

The demand for analog-to-digital and digital-to-analog converters which can operate off a
single 5-Volt supply is increasing rapidly. The following products meet some important
application needs.

5.2 Video ADCs

Analog-to-digital converters which can convert at a rate in excess of twice the video bandwidth can be
termed "video ADCs". One such device is the TLC5510 which converts at a minimum rate of up to

20 M samples per second. Its features, shown in figure 1-32 include an input bandwidth (-1dB) of 14
Mhz. This wide input bandwidth reduces signal distortion and ensures a linear conversion relationship
between analog video signal and digital image processor.

TLCS510 - 8 bit, 20 MSPS ADC

Features

8 bit Resolution

Differential Uneanty Efor .....c...c........... + /- 0.5 LSB Max
Linearity ETOr .....oooievniiiiieee + /- 0.75 LSB Max
Conversion Rate (MaX) ....c...ocvevveennnnn 20 MSPS Min
Input Bandwidth ..o 14 MHz (1dB) Typ
5V Single Supply Operation

Low Power Consumphtion .................... 90 MW Typ
Interchangeable with Sony CXD1175

Applications

Digltal TV
Portable VCRs
Mdeo Signal Processing

Figure 1.32 - TLC5510 - 8-bit, 20-MSPS ADC
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TLC5510 Functional Block Diagram

VRB
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Figure 1.33 - TLC5510 Functional Block Diagram

The functional block diagram of the TLC5510 is shown in figure 1.33. It utilises a
modified half-flash architecture which yields a faster results at lower power than that
which would be achievable with the standard half-flash approach.
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TLC5510 Application Circuit
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Figure 1.34 - TLC5510 Application Circuit

It is important when applying video ADCs to pay sufficient attention to grounding,
decoupling and good layout of the printed circuit board. Figure 1.34 shows the typical
components and their interconnect, but not their layout, which should accompany the
TLC5510 in a video application. Frequent use of ferrite beads in the supply connections is
recommended to increase the impedance to high frequency noise.

The transistor acts as an input buffer and provides level translation between the input
signal and the +5-Volt single supply ADC.
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5.3 8-bit DACs

The 8-bit digital-to-analog converter is now a ubiquitous electronic component which is
used by system designers to perform many tasks which would have been out of the
questions because of cost just a few years ago. Multiple DACs on a single IC save space
and cost thus making their inclusion even more attractive to designers.

TLC5620 - Quad 8-bit Digital to Analog Converter

Features

Four 8-bit Voitage Output DACs

5-V Single Supply Operation

Serial Interface

Four Separate Reference Inputs

High Impedance Reference Inputs ......... 200 Kohms Typ
Programmable x1 or x2 Output Range

Simuitaneous Update Facility

Internal Power-on Reset

Low Power Consumption ............ccccceuan. 10 mW Typ
Small Footprint - 14 pin SO package

Applications

Programmable Voltage Sources
Automatic Equipment Calibration
Automatic Test Equipment
Waveform Synthesis

Process Control

Figure 1.35 - TLC5620 - Quad 8-bit Digital to Analog Converter

The TLC5620 contains four voltage output 8-bit digital-to-analog converters on a single
chip. Its main features which are summarised in figure 1.35 include a serial digital
interface and simultaneous update facility. The gain of the output amplifiers which are
connected to each DAC output can be programmed to either x1 or x2. There is an internal
power-on facility which ensures that all DAC registers contain all zero's at device turn-
on. Four separate reference inputs are available which provides maximum flexibility. All
of this functionality requires only 10 mW of typical power consumption and is available
in a space-saving 14-pin SO style package.
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TLC5620 Functional Block Diagram
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Figure 1.36 - TLC5620 Functional Block Diagram

The internal construction of the TLC5620 is shown in figure 1.36. The device is fully
double-buffered which enables the first tier of latches to be loaded sequentially via the
the serial DATA input and the second tier of latches to be loaded simultaneously by
toggling the LDAC pin.
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Programmable Window Comparators

TLC5620
REFA o1->— pAC >
REFB o—{> DAC ™
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o
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(Window 1)
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The applications of the TLC5620 include programmable voltage sources, automatic test

Figure 1.37 - Programmable Window Comparators

equipment, automatic calibration routines, waveform synthesis and process control.

Figure 1.37 shows a pair of programmable window comparators which are used in
automatic test equipment to determine pass/fail categories of components and/or
systems. The open- collector outputs of the LM311 comparators are wire-ORed. Higher
transition speeds may be achieved, if required, by reducing the value of the output pull-

up resistors.
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TLC5628 - Octal 8-bit Digital to Analog Converter

Features

Eight 8-bit Voltage Output DACs

5-V Single Supply Operation

Serial Interface

Two Reference Inputs

High Impedance Reference Inputs ......... 200 Kohms Typ
Programmable x1 or x2 Output Range

Simultaneous Update Facility

internal Power-on Reset

Low Power Consumption ....................... 20 mW Typ
Smali Footprint - 16 pin SO package

Applications

Programmable Voltage Sources
Automatic Equipment Calibration
Automatic Test Equipment
Waveform Synthesis

Process Control

Figure 1.38 - TLC5628 - Octal 8-bit Digital to Analog Converter

The TLC5628 contains eight voltage output 8-bit DACs in a single 16-pin SO package.
The features of the device are similar to those of the TLC5620 with only a few
differences. These are highlighted in figure 1.38. The TLC5628 has twice the number of
DACs as the TLC5620. The TLC5628 has only two reference inputs. It also consumes,
quite understanably, twice the amount of power (20 mW typ) as the TLC5620.
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TLC5628 Functional Block Diagram

REF1 o] + DAC 3 . oacA
8 |Latch Latch 8 5 b
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Latch ['8] DAC h E‘_L E*DACE

aton 8 —o “ fijACH

REF2 o

CLK .
Serial Power-on
DATA o~ interface Reset
LOAD
° LbAC

Figure 1.39 - TLC5628 Functional Block Diagram

The architecture of the TLC5628 is shown in figure 1.39. It shows a certain similarity to
that of the TLC5620. The DACs are configured in two sets of four, each set being
connected to a single reference input. However, like the TLC5620, all DACs can be loaded
serially and updated simultaneously via a double-buffered data input structure.
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Software Controlled Auto-calibration

TLC5628

REF1 o

REFC ]

Pins 1, 8 of TLE2037
- offset adjust pins

CLK 04- .
DATA o Serial It.:terlace

LOAD o Latches

Figure 1.40 - Software Controlled Auto-calibration using the TLC5628 Octal DAC

The TLC5628 can be used in most of the applications previously mentioned for the
TLC5620. Figure 1.40 shows how each DAC output can be used to adjust the offset of an
operational amplifier in a software controlled auto-calibration system.
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6 Grounding and Decoupling

6.1 Introduction

This next part of the seminar is important enough to warrant a separate section of its
own. Unfortuneately we do not have time to cover all the many aspects of this subject.
However it is worth mentioning some points which may help to improve system
performance.

6.2 Grounding

The assumption by many design engineers that the word "ground” implies a zero-
impedance return path where all good signals go to having completed their task in life is
one which causes frequent problems in electronic systems. The situation is made worse in
mixed-signal applications where high speed digital current spikes may share the same
ground return path as sensitive analog signals.

The important point to remember is that every ground return path has a finite
impedance associated with it. This means that it has a resistance, capacitance and
inductance which can induce noise and instability in the system. This is often not a
problem in purely digital systems. However in analog-only systems or, worse still, mixed
analog-digital systems, poor grounding can ruin the performance of an otherwise good
design.

To improve grounding the use of ground planes is recommended. This reduces the
impedance of the ground return path significantly. It also makes this low impedance
ground return path available to all the components on the printed circuit board. The use
of matrix interconnect boards should be avoided in mixed-signal systems.

To enhance the performance of mixed-signal systems it is useful to separate the ground
plane into two areas (at least). One area can be used exclusively as a ground return path
for digital components such as logic, bus drivers and memory ICs. The other area is used
as the ground return path for the more sensitive analog components. This has the effect
of keeping potentially noisy high frequency digital currents from appearing in the ground
return of the analog portion of the circuit. The two portions of the gound plane should
only be connected prior to the return to the power supply.
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Mixed-Signal Systems -
Use Separate Analog and Digital Ground Planes

ANALOG GROUND PLANE DIGITAL GROUND PLANE

'
1
'
'
'

Vo

DATA
Analog ADC iqital! DSP
Input Dlgs;taI:Dala Tx/Rx
Analog Digital Dat

Power Supply |
Ground Return

Figure 1.41 - Mixed-Signal Systems - Use of Separate Analog and Digital Ground Planes

Physical separation of digital ICs from analog components not only simplifies the
provision of separate ground planes but also minimises capacitive coupling of high
frequency digital signals to the sensitive analog portions of the printed circuit board.

6.3 Decoupling

The careful decoupling of both digital and analog ICs is essential to achieve optimum
system performance in mixed-signal systems. The use of ground planes assists in
providing a local route to ground, for every decoupling capacitor, anywhere on the PCB.
It is suggested that a 100-nF ceramic capacitor is connected between the power supply
pin of each device and the nearest point on the ground plane via short leads to reduce
inductive effects. It is also worth connecting a tantalum capacitor of between 4.7 tF and
10 pF in value in paralle] with the ceramic capacitor between the supply pins of
particularly power hungry devices and the nearest point on the ground plane.
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7 Intelligent opto sensors

7.1 Introduction

An important application for signal conditioning, is to amplify sensor signals from the
outside 'real' world; and to generate appropriate signals for conversion to digital
processing. In this section we consider techniques of measuring light and delivering these
analogue measurements into the digital domain.

The simplest real-time measurement of light level is the simple photo-diode. In a photo-
diode, incident radiation is absorbed by the silicon, to generate hole-electron pairs. These
in turn give a photo-current across a reverse-biased p-n junction.

For a photo-diode current-mode sensor, the current is proportional to the light
intensity.

Photo-diodes may be modified into photo-transistor elements or be used with appropriate
op amps and then with data conversion elements to deliver a measurement of light level
to a digital control circuit. In this section we shall examine structures which combine
light sensing, signal conditioning and data conversion in integrated structures. Such
devices will offer convenience of use at modest cost.

The Texas Instruments’ LinCMOS™ process, used extensively for low input-offset
operational amplifiers, can be easily adapted by the addition of light shields to make
integrated photo-sensor structures. A photo-diode made by this process is responsive
from 400 nm to 1100 nm (visible and short infra-red) when encapsulated in transparent
plastic. The TSL250 and TSL230 integrated light sensors respond over this entire
spectral range. However, by modified encapsulation a more restricted response (visible
only, or infra-red only) can be achieved. An example of such a device is the TSL260.
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7.2 Light-to-voltage sensors TSL250/TSL260

7.2.1 Overview

In this section, we shall describe how a current mode sensor is combined on a chip with
relatively simple signal conditioning elements, to make a useful device. We shall consider
the example of the TSL250 first. The TSL250 light-to-voltage converter solves some basic
application needs. It is particularly suitable for analogue measurement of low light levels
in an electrically noisy environment.

TSL250/TSL260 Light to Voltage Sensor

PIN 1 GND
1 / PIN 2 Vdd
3 PIN 3 Vo

\p @ Light Intensity

Figure 1.42 - TSL250/260 light-to-voltage sensors

In the TSL250, a large area photo-diode is combined with a trans-impedance amplifier, so
the photo-diode current output is converted to an output voltage.

Three versions of the device are produced, with different photo-diode areas, and internal
feedback resistor values.
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7.2.2 Sensitivity Variants

TSL250 gives 2V output for 25 microwatts/cm?2
TSL251 " " for 60 microwatts/cm?
TSL252 " " for 425 microwatts/cm?

TSL 250 Output Voltage

10
Vd ;1\ =5V
=550 nm
No Load W
1 Ta =25°C
Vo i /
Output ”
Voltage . ; i
0.1 - et /
, // TSL252
0.01 ///
0.001

0.1 1 lrradiance Microwatt/en?® 10 100

Figure 1.43 - TSL250 output voltage

To get some idea of what these incident light levels mean, we can consider a photo-metric
equivalence (for visible radiation) of 90 lux = 14 pW/cm?2.

Dusk, when street lights are turned on, is about 70 Jux. The TSL250 gives 2 V output at
150 lux. Office lighting at a work surface is typically 300-400 lux, where a TSL251 would
give 2 V output. The TSL252 would give 2 V output in outdoor daylight illumination.

The TLS250 family is appropriate for a wide range of light sensing applications in light
level control over a wide range of light levels, for security applications, and for boiler
flame control in gas or oil heaters.

7.2.3 Characteristics

The LinCMOS™ trans-impedance amplifier (similar to the well-established Texas
Instruments operational amplifier TLC272 ) provides stable low input offset. The TSL250
offers high dynamic range, with linear output up to 3V, with only 3 mV output in the
dark.
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The TSL250 has a significant advantage over discrete photo-diode light sensors under
low illumination, since the high impedance output node of the diode is internal to the
device. This makes the TSL250 inherently less sensitive to external electrical noise, so a
highly stable sensitive detector can be realised without expensive and cumbersome
screening techniques. Similarly the TSL250 is inherently less prone to current leakage
problems in detector circuit assemblies.

TSL250 / TSL260 Spectral Responsivity

1.
RN / \
08 ’ \
>
=
€ 06
o O
g / TSL250
a8
204
®
@ |
o l: VISIBLE
0.2
0
300 500 700

Wavelength - nm

Figure 1.44 - TSL250/ TSL260 spectral responstvity

In summary, the TSL250 family has a highly linear, stable, low-impedance voltage
output. The TSL250 output is stable with temperature, changing by 1 micro volt per
degree Celsius. This is because the temperature coefficient of the polycrystalline silicon
feedback resistor compensates the temperature coefficient of the photo-diode.

The TSL250 operates off a single supply voltage ( it is characterised at Vpp =5V, but
will operate between 3V and 9V ), and consumes little current ( 800 nA at Vpp=5V
when illuminated ).

The TSL250 family is offered in a high-volume clear plastic side looker package. For
applications like infra-red remote control where the device should not be affected by
ambient visible light, the same silicon die can be packaged in a light-blocking, infra-red
transmissive plastic. The family of infra-red-only light to voltage sensors is the TSL260,
TSL261 and TSL262. The sensitivity of these filtered devices is less, with the voltage
output at the peak response wavelength approximately halved.
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TSL250 / 260 Responsivity Variants

300 - 1100 nm 800 - 1100 nm

TSL250 - 25 uW/cm? TSL260 - 48 uW/cm?

TSL251 - 45 uW/cm? TSL261 - 87 uW/cm?

TSL252 - 285 uW/cm? TSL262 - 525 uW/cm?2

Input Irradiance for 2 V Qutput

Figure 1.45 - TSL250/TSL260 responsivity variants

7.2.4 Speed Vs Responsivity

The internal feedback in the trans-impedance amplifier increases from the TSL252 to the
TSL250. As the feedback is increased the speed is reduced. The TSL252 output rise and
fall times are typically 7 us, for the TSL251 they increase to 90 us, and for the TSL250
they are 360 ps. In the TSL260 family the response time of each device corresponds to its
unfiltered (TSL250) equivalent. For example the TSL261 has the same output rise and
fall times as the TSL251.

The basic die design could be extended to higher speed operation, trading responsivity for
speed, by reducing the diode area and the feedback resistor and capacitor values -- the
extremely low dark voltage resulting from the LinCMOS™ technology would permit this.

7.2.5 TSL250/TSL260 Data conversion

From a 5-V supply rail the TSL250/TSL260 families give a linear output up to
approximately 3 V, and saturate typically at 3.5 V. Use of a pull-up resistor can extend
the linear output range to within typically 10 mV of the positive supply rail, with a
penalty of only a few milli-volts increase in the dark level output. A TSL250 or TSL260
can be combined with an appropriate ADC to deliver light measurement to a digital
Processor.
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3 V Digital Control Using TSL260

3V =VDD

R
\q CONTROL

LIGHT TSL260 o—p{a, TLV1549 PROCESSOR |—» CIRCUIT

H

Figure 1.46 - Digital control using the TSL260

A simple schematic is shown, see figure 1.46, combining the TSL260 with the 10-bit serial
input ADC TLV1549. A pull-up resistor is used to give a good dynamic range from a
nominal 3.3-V positive supply rail. The lowest dark level is obtained by use of a high pull-
up resistor value, but this exacts a penalty in conversion speed. A resistor value of
100 kQ will allow measurements of low light level, since the dark current level is
typically 3 mV; however the conversion speed will be only 300 Hz. To run the TSL262 at
its maximum speed with this simple circuit the resistor value would need to be reduced
to 1 kQ and the dark current level would increase typically to 15 mV.

The next device we shall consider operates through a different principle and is capable,
at modest cost, of giving high resolution, linearity and speed.

7.3 Light-to-frequency sensors TSL230

7.3.1 Overview

Next we shall examine a high performance and low cost technique of delivering the
output from a light sensor into the digital domain. Instead of classic conversion of an
analogue sensor output through an A-D converter (either discrete as in the example of
the TSL260 and the TLV1549; or with the A-D converter integrated into a micro
controller, or sensor system processor like the TSS400) a photo diode current can be
converted into a frequency output. This output can be handled by a counter or timer.
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Thus high precision light measurement can be accomplished without the cost of separate
analog to digital conversion.

TSL230 Block Diagram

VDD Frequency X
Light Intensity

\ - JIU UL

10X 10 Switched C Output

Light Photodiode I-F
Array Converter
——®
Qutput
Enable
Sol 811 _T‘L' lsz lsa
Sensitivity Select QOutput Select
+ Power Down (Frequency Scale)

Figure 1.47 - TSL230 block diagram

The device to realise this is a low-cost programmable device, the TSL230. This enables a
wide dynamic range of light level to be measured with high precision, linearity and
temperature stability; or rapidly changing light levels to be processed. The TSL230 can
be directly coupled to a digital processor, in micro controller, or logic control as the
application dictates.

7.3.2 TSL230 Characteristics

The TSL230 is a monolithic programmable light-to-frequency converter. It is currently
the only device of its kind to offer direct high resolution conversion of visible and short
infra red radiation into digital format.

It contains an array of 100 photo diodes with a patented current-to-frequency converter
(using switched capacitor charge metering). The output is a pulse train, with frequency
proportional to the light intensity incident on the active photo diode area. Input lines
from the digital control circuit provide real-time control of the TSL230 sensitivity (unlike
the earlier TSL220 device no external capacitors need be provided) and offer a power-
down function; also the output frequency can be scaled to match the characteristics of the
digital control circuit. For stable or slowly changing light levels, very high resolution
may be obtained by pulse counting; for rapidly changing light levels the pulse separation
may be timed.
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The TSL230 operates from a single supply (from 3V to 6 V) drawing typically 2 mA
supply current. These is a pin-programmable power-down option, reducing the supply to
10 micro amps when the sensor is not active. This is useful for portable, battery powered
applications.

Output Frequency vs Irradiance
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Figure 1.48 - TSL230 output frequency vs irradiance

The programmable sensitivity of the TSL230 is effected by a simple electronic technique,
switching in different numbers of the 100 elements of the photo diode matrix. These
sensitivity ranges (X1, X10, X100) can be chosen through the logic levels of input pins Sy
and S,. The digital control circuit can thus optimise the TSL220 operation to the ambient
light level, preserving the full output frequency range. The light levels of 0.001 to
100,000 nW/am? can be accommodated directly, without the expense of filters.

For cost reasons, low cost micro controllers with limited frequency range may wish to be
used for the digital control circuit. The TSL230 has two input lines S9 and Sg to provide
output frequency scaling. Options are an undivided pulse train with fixed pulse width, or
square wave divide-by-2, -10, or -100 outputs. There is also an output enable pin, so that
the TSL230 can be placed in a high impedance state when not required. This is useful for
applications where several input devices share a micro controller.

The TSL230 is temperature compensated to give a stable 300 ppm change in output
frequency per degree Celsius (at 660 nm radiation).

The non-linearity error is low; being typically only 0.2% full-scale for the output
frequency range 0 to 100 kHz. Dark output is typically only 1 Hz.

The TSL230 is offered in a transparent 8-pin Dual-In-Line package. It is highly versatile
and suitable for a wide range of light-measuring and position-detecting applications.
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The pulse output gives the TSL230 high noise immunity, making it suitable for industrial
environments.

Typical applications of the TSL230 include water turbidity measurement, flame control
in heaters, light-metering, fluid absorption measurement, paper handling, and general
visual process control.

For slowly changing or stable light sources, the wide dynamic range of the TSL230
enables high precision measurements to be made. Further, since the TSL230 output
responds pulse by pulse, the device can also sense quickly changing light sources. An
application brief (SLBT003 - TI Library Ref) demonstrates how to take 16-bit or 8-bit
measurements using 3 popular microcontrollers from Texas Instruments, Motorola and
(Arizona) Microchip. Program listings are given.

7.3.3 TSL235 Pre-programmed Light to Frequency Converter

It is clear that for the essential light to frequency conversion function only three
connections are required - the voltage source, the ground and the output. To reduce user
cost even further a pre-programmed variant -TSL235- is offered in a Jow cost, three
terminal sidelooker package. This package is identical to that used in the TSL250 light to
voltage converter described earlier. In the TSL235 the photodiode array is
preprogrammed so that all one hundred elements are always used. The output frequency
divider is also fixed in the divide-by-2 setting which gives a square wave output. The
TSL235 thus operates up to 500 kHz maximum output frequency and preserves most of
the dynamic range of the TSL230.

TSL235 Block Diagram

VDD Frequency X
T Light Intensity
Switched C ° l I l I l 1_
1OX10 | -F Output
Light Photodiode Converter
Array 0

L

Figure 1.49 - TSL235 Block Diagram
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7.4 Line arrays - TSL213/TSL215

7.4.1 TSL213 Functional Block Diagram
7.4.2 Summary

The TSL213 array illustrates how a complex sensor, which integrates light-sensing ,
analogue and digital elements, can offer the prospects of low system cost, and ease of
design.

The TSL213 is a 64-element line sensor, fabricated from the established Texas
Instruments LinCMOS™ mixed-mode volume wafer technology. The pixels have a 125
micron centre-to-centre spacing. The TSL213 is a charge-mode sensor. That is, during an
exposure period, a charge is developed on each pixel proportional to the product of the
light intensity and the exposure time ( in this it is like a CCD imager, and analogous to
photographic film).

TSL213 FUNCTIONAL BLOCK DIAGRAM
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Figure 1.50 - TSL213 Functional Block Diagram

On a single TSL213 die are integrated the light-sensing pixels, analogue signal
conditioning, and digital address and switch elements ( equivalent to approximately 2500
gates ).

The internal complexity of the die has been chosen, to make the device easy to use in a
microprocessor or digital processing system environment. To operate the TSL213, only a
single 5V supply and integration (exposure) and pixel output clock pulses are required.
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7.4.3 Characteristics

The TSL213 operates at data rates between 10 kHz and 500 kHz. The relatively large
pixel size permits assembly in a high volume low cost 14-pin plastic dual-in-line package.

The TSL213 is recommended as a real alternative to either discrete photo-sensor arrays
or to CCD line imagers in sensing systems where more than one sensor is required, and
the sensors form part of a digital control system. Typically the pixel size in a line CCD
imager is 10 microns, and for a discrete photo-diode or photo-transistor is 1000 microns.
At 125 microns pixel size, the TSL.213 is appropriate for many applications.

7.4.4 Function Blocks

The functional structure of the TSL213 is shown in Figure 1.50. There are 64 pixels in a
line array, which are addressed individually (unlike CCD where all pixel charges are
switched along an analogue register simultaneously).

The exposure or integration period is defined as the time between clock pulses on the
Serial Input (SI) pin. The integration period is chosen in each application to give a
suitable output level for the light intensity available.

The charge in each pixel is transferred to the output sense node by means of the Clock
Pulse (CLK). The sense node generates a signal voltage directly proportional to the
charge.

A 64-bit shift register controls the transfer of charges to the output and provides timing
signals for the non-overlapping clock generator (NOCG). The NOCG provides internal
control for the sensor elements, including charge sensing and reset. The reset establishes
a known voltage at the sense node in preparation for the next pixel charge transfer. This
voltage is used as a dark reference level for the differential signal amplifier. By means of
the NOCG, feedthrough clock noise is eliminated at the output. The sample-and-hold
signal generated by the NOCG holds the voltage analogue output of each pixel constant
until the next pixel is clocked out.
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7.4.5 TSL213 Timing Diagram

TSL213 Timing Diagram
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Figure 1.51 - TSL213 Timing Diagram

7.4.6 Combination Of Arrays

The architecture of the TSL213 enables more than one array or die to be connected in
series or parallel configuration. Thus a 128 pixel device (TSL215) may be easily created.
The 64 pixels of the TSL213 die are in groups of 8 pixels; the outputs of different groups
may be balanced by means of resistors which can be fused to one of 5 levels at multi-
probe. This enables long uniform arrays of pixels to be realised -- practical 1728 pixel 200
dpi A4 facsimile contact sensors can be made by serial connection of TSL213 dice.

Several TSL213 imager die may be connected in series or in parallel, on customised
substrates to provide higher complexity imagers. For example, eight serially connected
dice could make a 512 pixel line imager, for a mark reader such as a lottery card reader.

Serial Connection

For serial connection, the Analogue Outputs (AO) must be connected together and the
Serial Output (SO) of each sensor array connected to the Serial Input (SI) of the next
array. The externally applied SI pulse is applied only to the first array of the series. For n
arrays in cascade the SI pulse is applied after each n x 64 positive going clock transitions.

Parallel operation
Parallel operation of multiple arrays is achieved by supplying clock and SI pulses
simultaneously. The outputs of each device may then be processed separately.
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Initialisation

At power up, or after a period of SI or readout clock inactivity exceeding the integration
time, the sensor elements may need to be initialised. This consists of 15 consecutively
performed output cycles to clear the pixels of any charge which has accumulated during
the inactive period.

7.4.7 TSL215/TC102 Comparison

Summary

Two TSL213 dice may be combined serially within a single device to make the TSL215
128-pixel line sensor array. The TSL215 is here compared with a 128-pixel CCD line
array , the TC102.

Pixel Size

The most obvious difference is that the active optical length of the TSL215 is almost 10
times that of the TC102. The TC102 is a CCD array where all the pixel charges of an
integration period are clocked out together down transport registers, while the TSL215 is
an addressed array where pixel charges are individually switched out. The coarser pitch
of the TSL215 derives from the physical size of the switching elements (including the
NOCG) associated with each individual pixel. For the standard LinCMOS™ technology
the relatively fine optical resolution of the CCD cannot be realised.

Comparison of 128 Pixel Imagers

TSL215 (Addressed Array) | TC102 (CCD imager)

Pitch 125 micron 12.7 micron
Speed 1MHz o/p data 10MHz of/p data
nput 5V digital supply. +2V, 16V clock

+16V VDD, +7V REF.

integration & readout clocks Needs mos-drivers (Ext)

Readout Pixels individually addressed | Al pixel charges

simultaneously moved
Output Conditioning | Analog video output Needs video clamp,
external sample/hold
to remove clock noise.

Figure 1.52 - Comparison of 128-pixel Imagers
Data Rate

The maximum data output rate of the TSL215 has been set by the switching design at
1MHz, whereas with careful driver circuit design the TC102 can deliver data out at up to
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10 MHz. However, the TSL215 is far simpler and more economical to drive, and its
output is more easily handled.

Drive Requirement

The TSL215 drive requirement is a single 5 V supply, an integration pulse and a output
clock . The TC102, however, requires positive (+2 V) and negative (-16 V) clock pulses,
+16 V Vpp, and a 7-V reference. The registers must be driven through a dual MOS-driver
such as the TLD369.

Output Requirement

The output of the TSL215 is also much more convenient |, being an analogue video
envelope. With the TC102, the analogue voltage levels of the video pixels are offset by the
output buffer amplifier, and must be externally clamped to a video black reference using
a train of black reference pixels provided. External sample-and-hold must be done on the
clamped voltage output, to eliminate the clock feedthrough noise between the valid pixel
levels.

Cost
These input and output tasks with the CCD device make it much more expensive in a
system, on top of the higher cost of the CCD device itself. (One advantage of the
relatively coarse pixels is that a low cost plastic packaging technique may be used). For
applications where arrays of discrete photo-sensors, or low resolution CCD were hitherto
used, the TSL213/TSL215 provides an attractive alternative.

7.4.8 PC404/PC405 - Evaluation Systems

Evaluation kits, PC404/PC405, are available to facilitate initial evaluation of the TS1.213
and TSL215 Line Arrays. They also demonstrate the simplicity of operation of the arrays
with digital control circuits to perform complete light sensing functions.
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PC404 Evaluation Circuit
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Figure 1.53 - PC404 Evaluation Circuit
PC404 Kit

The PC404 consists of an imager, a circuit board with drive and output circuitry, and a
detachable 10 x magnification lens in a housing. The circuitry of the PC404 comprises an
oscillator, a counter/divider, a one-shot pulse generator and a comparator. The oscillator
is built round a TLC555 timer and generates a 500 kHz output data clock pulse. the clock
output of the oscillator is routed also to a 74HC4040 divider. This has a set of jumper
terminals to four of the outputs, and 1 ms, 2 ms, 4 ms or 8 ms Integration Time may be
selected. The chosen output is connected to the 75HC123 one-shot pulse generator, which
provides the imager with the SI pulse.

Trimming potentiometers and test points are provided. Two alternative outputs are
provided. One is the Analogue Output (AO); for the other - Threshold Out - the AO is
routed to an LM339 comparator, which squares up the output for digital compatibility.
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PC405 kit
The PC405 board is software based. A pre-programmed 8 bit micro controller provides

the drive to the line imager, processes the imager output and drives a two-digit LED

output display.

PC405 Evaluation Circuit

Vee Vee Vee
T 2-DIGIT
3 LED
MC68705 v OUTPUT
MICRO- DISPLAY
CONTROLLER
Vce
— | e e
PROGRAM SELECT
DIGITAL
—_[_—" OuUTPUT

NB TSL214 variant used for TSL213 assessment.
This has same die, but different pin-out.

Figure 1.54 - PC405 Evaluation Circuit

Four functions are available:

[ Digital Output

g Object Edge Detection

. Line Position Detection

[ Light/Dark Transition Counter
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1 Introduction

Analog Interface for DSP

/P SIGNAL
CONDITIONING
ANALOG ~ > DIGITAL i
NeuT P D N ADC P processing [P b N
PT
GE
OUTPUT
SECTION | R 4P
— T F IpiGITAL
% DIGITAL tel ™
ANALOG 1]
OUTPUT N DAC 4 processme [ E

@ An Analog Interface Circuit is a complete data-acquisition system on a chip

@ it provides an "audio-band” interface to/ffrom a DSP to/from the real, analog world

Figure 2.1 - Analogue Interface Circuit in a DSP Based System

The last decade has seen the adoption of digital signal processing (DSP) techniques in a
whole range of industrial and consumer products. The advantages of accuracy and
repeatability of digital approaches are being utilised in functions ranging from multi-tap
filters in communications systems through to precision motor control.

A fundamental requirement which remains necessary, in order to expoit DSP methods, is
the conversion of signals from analogue into digital and digital into analogue form and
the rapid transfer of these conversion results into and out of the digital signal processor.
It is important that bottlenecks are avoided in the flow of data between the real world
and the computational heart of the DSP. The Analog Interface Circuit is a class of mixed-
signal products which includes the necessary analog circuit blocks and an optimised
interconnection scheme to facilitate the rapid and efficient transfer of information
between the analog and digital domains.
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2 Voice Band Audio Processors

TLV320AC36 Voice-Band Audio Processor
Simplified DSP Audio Interface From a Single 3 Volt Supply

o Single 3-V Supply Operation
+Vee

® 300 - 3.4 kHz Bandwidth (0 dB) ?

® Low Power consumption )
20 mW typ P‘ "l>‘

COMPANDED

2 mW typ (power down mode)
PCM DATA
®  13-bit linear or 8-bit companded

mode ( Pin selectable) [}- ;

s TO/FROM
DAC -} DSP
M (LINEAR/ e
COMPANDED)

ADC !
_/—\_ - (LINEAR/ =
COMPANDED) LINEAR/

®  Direct interface to electret
microphone and earpiece

==
®  Compatible with all DSPs -

®  Small Footprint SQFP Package

Figure 2.2 - The Voice-band Audio Processor

2.1 Introduction

Many voice-band signal applications now require an efficient interface between analog
components and the DSP in order to save space, weight and power consumption in an
increasingly portable world.

This need has spawned a significant family of AICs known as Voice-band Audio
Processors or VBAPs. Like other more conventional AICs, they offer ADC, DAC, pre and
post filter stages and on-chip amplifiers, as shown in figure 2.2. However, the electrical
characteristics of these sub-components have been tailored to meet the specific needs of
voice-band applications. Texas Instruments has developed the TCM320AC3X/4X family
of monolithic ICs which provide the complete voice-band (200 Hz - 3.6 kHz) interface and
operate with a 5-V single supply. Recently the range of VBAPs has been expanded to
include the TLV320AC36 which requires only a 3-V single supply voltage.
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The devices are suitable for a wide range of voice-band data acquisition systems using a
DSP including cellular and cordless telephones, answer machines and test equipment.

2.2 The TLV320AC36 3-V Supply VBAP

At present 5 volts is the supply voltage of choice for mobile phones and other VBAP™
applications though manufacturers are looking seriously at moving to 3 volts for new
designs to reduce power consumption and increase battery life. The TLV320AC36 3-V
VBAP is already available to meet that need. The device utilises both continuous time
anti-aliasing and switched capacitor low pass filters to pre-condition the input signal
prior to analog to digital conversion as shown in figure 2.3.

TLV320AC36 Block Diagram

Continuous Time Filter Switched Capacitor Filter
MICMUTE INPUT TRANSMIT TRANSMIT TRANSMIT oUTRUT 13 oout
BUFFER 3rd ORDER [—*| 6lh ORDER 1st ORDER  *| ADC LOGIC
MICIN ANTI-ALIAS LOW-PASS HIGH-PASS 112 FSX
MICGS TH i
VMID 256 kHz
e—{1d TSXDCLKX
MID VMID BANDGAP 256 kHz CLOCK GLOCK
GENERATOR REFERENCE | o kHz*| GENERATOR [*] CONTROL [T CLK
MICBIAS L7 pCLkr
EARA 1
RECEIVE l—3) FSR
EARB EARPHONE 6th ORDER DAC || 'fgég
EARGS AMPLIFIER LOW-PASS L8] oiny
EARMUTE
POWER DOWN LOGIC
[
PDN Switched Capacitor Filter

Figure 2.3 - TLV320AC36 Block Diagram

The TLV320AC36 offers user-programmable linear and U-Law companding data
conversion and runs with a master clock of 2.048 Mhz. The device consumes only 20 mW
in normal operating mode. This is reduced to only 2 mW when the power down facility is
activated by taking the /PDN pin low. Its suitability to mobile phone applications has
been further enhanced by the recent introduction of the plastic quad flatpack version
(PT) which has a footprint of less than 1 cm square (including leads) and a height above
the PCB of less than 2 mm.

The TLV320AC36 is similar in architecture to the other members of the VBAP family. It
is useful to review their common features.
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2.3 Voice-band Audio Processor Building Blocks

The Voice-Band Audio Processor (VBAP) is divided into a transmit and receive section
which is controlled from a central timing unit. The input signals from the microphone
are amplified via a programmable gain input amplifier to accommodate a range of signal
input levels. The amplified signal is passed through an anti-aliasing filter and a high
pass filter then converted into digital code. The linear selection pin, when LOW, selects
13-bit linear coding/decoding and, when HIGH, selects companded coding/decoding.
Selection of the linear mode of operation reduces the software required in the DSP. The
digital data is buffered and clocked out, to the DSP, via the output logic.

The received digital signals are clocked into the device via input logic. The status of the
linear selection pin, /LINSEL, determines if the incoming data is companded and
requires decoding or if the data may be transferred directly to the DAC. The analog
signal from the DAC is passed through switched capacitor filters, which provide out-of-
band rejection and (sinx)/x correction. Switched capacitor design techniques provide the
user with precise audio band pass filtering and low power consumption. The filtered
signal is presented to the differential output amplifier which may be connected directly to
a piezo speaker.

Simple Voice-Band Analog Interface to DSP

Minimal External Components Required

3V av
v
we T |YMP ° oout »lpr  * >
T »{CLKR
= MICBIAS DIN | DX ‘_‘—To o
L MICGS P CLX TELEPHONE
N
TLV320AC3i TMS320C5X RF INTERFACE
MICROPHONE | 4 ;.¢ AP 6 o e
-
‘Ed—“—{ MICIN
= LIR EARA >
- ! X1
B EARGS PR o "1‘5_—"‘:—“_—"
[Rr2 FSR |«& - FSX
EARB FSX | > FSR X2
SPEAKER MICMUTEGND GLK CLKOUTY PR
? L CRYSTAL
DISPLAY ‘ P o
2.048MHz
MICROCONTROLLER e ook
KEYBOARD GENERATOR

Figure 2.4 - Simple Voice-band Analog Interface to DSP

Both the input and output amplifiers have a mute function which is accessible by the
DSP. When the mute function is activated both amplifiers are disabled. In a telephone
this function may be used to provide the user with a secrecy function.

The devices offer the user single supply operation and allow power consumption of 40mW
typically (and only 1.25 mW typical in power down mode).
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The Voice-band Audio Processor is designed to provide a direct interface to the
microphone, earpiece and DSP.

The Earpiece Interface.

This interface provides a balanced output from the differential output amplifier which
drives a piezo speaker without the need for additicnal active components.

The output amplifier has adjustable gain-setting via the external resistor network, R1
and R2. It is recommended that the value of R1+R2 is set greater than 10 kQ to reduce
loading effects on the amplifier, and less than 100 kQ to minimise noise and distortion
due to the time constant of the parallel resistor combination of R1 and R2 with the
capacitance at the gain-set pin EARGS.

The output stage may be disabled by using the earphone mute control function. This
prevents the audio signal from being sent to the earphone and allows a secrecy function
to be incorporated in the system.

The Microphone Interface.

A direct interface is provided to an electret type microphone. The reference voltage for
the microphone amplifier and the bias voltage for the electret microphone are generated
on-chip. Thus minimising the external circuitry around the device.

When the input amplifier is disabled the device transmits only zero codes.

In the linear mode of operation the microphone interface provides an adjustable volume
control, this provides the user with a "soft touch" volume facility. The data word is 16 bits
long. The first 13 bits contain the linear data and bits 13-15 allow the volume level to be
adjusted in 8 steps between -18dBm0O and +3dBmo0. In the companded mode of
operation the data is transmitted and received in 8-bit words. The mode of operation is
pin selectable. Use of the linear mode simplifies software in the DSP.

The DSP Interface.
The Voice-band audio processor provides a standard serial interface to a TMS320 DSP or
any other standard DSP. Transmit and receive directions can be operated independently.

The distinguishing features between the different devices in Texas Instruments family of
VBAPs are the frequency of the master clock, the out-of-band rejection characteristics of
the filters, the companded format of the digital data and the minimum supply voltage at
which they operate. The devices are tailored for use in cordless and cellular telephones in
particular AMPS/TACS, CT-2 and GSM systems. Although targeted at these areas the
devices are suitable for use in many voice-band data acquisition applications using a
DSP; for example, digital encryption, digital voice-band, data storage, instrumentation
and ATE.

2.4 VBAPs in Mobile Phones

Though suitable for a wide range of voice band applications using DSP such as digital
encryption, data storage, portable instrumentation and answering machines, the prime
application for VBAPs is undoubtedly mobile phones. In fact the whole range of Texas
Instruments’ VBAPs has been tailored for use in cordless and cellular telephones; in
particular AMPS/TACS, CT-2 and GSM systems.
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Digital Cellular Telephone
Simplified System Block Diagram

ANTENNA
DUPLEX
SWITCH
1+Q 1+Q RF j
MICROPHONE G 1. \nsoncas |— —— RE ™ Power
vear 1 DsP (NTERFACE) | o lsMALL-SIGNAL I
sPeAKER M 4 cooec  [45
"—IRECEIVERl
+Q

KEYBOARD |—

| DISPLAY

MICRO-
CONTROLLER

Figure 2.5 - Digital Mobile Phone - Simplified System Block Diagram

Figure 2.5 shows a simplified block diagram of a digital mobile phone which uses the
VBAP to minimise the number of ICs and external passive components needed to
implement the voice-band section of the phone.

The VBAP family, shown in Figure 2.7, is also available in 20 pin dual-in-line or wide
body small-outline packages. The devices are characterised from 0°C to 70°C or -40°C to
85°C.
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VBAP Filter Characteristics
Effect of Master Clock Frequency
Gain e iy

(dB)

band

+———— 6,200 Hz idih
(4,096 MHz master cloek)

300 600 3400 . ..........G5800

0dBl—~~—-—=—~

(receive only)

sixth order
response

~tirst order ’
. {transmit and receive)

. response
- (transmit only)

Freq. (Hz)

Note: Master Clock Frequency o Filter Cutoff Frequencies
o Filter Bandwidth

Figure 2.6 - VBAP Filter Characteristics

The various members of the product family are distinguished by the type of companding
method used (u— or A-law) and the master clock frequency which is applied to the CLK
pin of the VBAP. This clock frequency has a significant effect on the filter response of the
device. The cut-off frequencies of the switched capacitor filters are directly proportional
to the master clock frequency. This has the overall effect that the bandwidth of the VBAP
is also directly proportional to the master clock frequency. For example, in the case of the
TCM/TLV320AC36 types of VBAP, the application of 4.096 MHz to the CLK pin produces
a bandwidth which is twice that produced by the standard 2.048 Mhz master clock. This
is illustrated in figure 2.6.

Each member of the family of VBAPs has been optimised to operate at its respective
master clock frequency. These clock frequencies produce filter characteristics which are
compatable with voice band signals. However the VBAP is useble, with some
performance degradation, up to bandwidths of 10 kHz by increasing the standard clock
frequency of 2.048, in the case of the TCM/TLV320AC36 types, by a factor of
approximately 3.
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Voice Band Audio Processors
Product Range and Features

Device Name,_  SupplyVoitage porA  Master Clock Primary Comment

()] Law (MHz) Application
TCM320AC36 +5 W 2.048 Generic Most Common Freq for
TCM320AC37 +5 A 2.048 Generic Personal Comms.
(TCM320AC38) +5 N 26 GSM All GSM have this
TCM320AC39 +5 A 2.6 GSM frequency
(TCM320AC40) +5 n 1.152 DECT All DECT have this
{TCM320AC41) +5 A 1.152 DECT frequency
(TCM320AC42) +5 o 1.944 usbc - All USDC have this
(TCM320AC43) +5 A 1.944 UsbC frequency
(TCM320AC44) +5 n 1.536 Wireless PABX Standard COMBO Central
(TCM320AC45) +5 A 1.536 Wireless PABX Office Frequency
TCM320AC46 +5 i 2.048 Generic Lower cost versions
(TCM320ACAT7) +5 A 2.048 Generic of 36/37
TCM320AC56 +5 H 2.048 Generic Versions of 36/37 without
(TCM320AC57) +5 A 2.048 Generic bit squelch
TLV320AC36 +3 n 2.048 3-Volt version of 36

Note: Type Numbers in Parentheses not yet available

Figure 2.7 - The VBAP Product Family.

Figure 2.7 shows the growing range of voice band audio processors and indicates some of
the principle features and applications of the various devices. Each device type is
targetted at a particular subset of the mobile communications market. This ranges from
the specific needs of systems such as GSM ( Group Speciale Mobile) to more generic
applications in analog cellular phones.
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3 Audio Bandwidth AICs

3.1 Introduction

Signal bandwidth capability is one of the main criteria by which a designer selects an
analog interface circuit. The VBAP devices discussed previously could handle bandwidths
up to approximately 3 kHz only. The next part of our discussion deals with AICs which
can process audio bandwidth signals; that is signals up to approximately 20 kHz.

As performance requirements get higher, so the need to use alternative circuit
techniques and architectures becomes necessary. Before looking at the individual devices
in more detail it is worth reviewing some the fundamental aspects of sampling theory
which will help to explain the some of the design philosopies used and assist in getting
the best performance out of these products in real applications.

3.2 Sampling and Quantisation

In order to produce a discrete digital representation of a continuously varying analog
signal, it is necessary to take samples of the signal at regular intervals and convert them
from analog into digital form. In an ideal situation the sampling function is a train of
impulses, each of which are infinitessimally narrow and have unit area. The frequency of
these pulses is the sampling rate (fs). The input signal can also be idealised by
considering it to be truly band limited, containing no components in its spectrum above a
certain frequency. )

The ideal sampling condition, represented in both the frequency and time domains, is
shown in figure 2.8. The effet of sampling in the time domain is to produce an amplitude
modulated train of impulses representing the value of the input signal at the instant of
sampling. In the frequency domain the spectrum of the pulse train is a series of discrete
frequencies at multiples of the sampling rate. Sampling convolves the spectrum of the
input signal with that of the pulse train to produce the combined spectrum shown, with
double sidebands around each discrete frequency which are produced by the amplitude
modulation. In effect some of the higher frequencies are “folded back” so that they
produce interference at lower ones. This interference causes distortion which is called
aliasing. Aliases cannot be removed by subsequent processing.

If we assume that the input signal is band limited to a frequency f1 and is sampled at
frequency fs it is clear it is clear from figure 2.7 that the overlap (and hence aliasing) will
not occur if

fl<fs-fl

otherwise written as : 2f1 < fs
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This is a simple statement of Nyquist’s sampling theory.

Sampling Theory
Input Waveform Sampling Function Sampled Output
fv h(t) Unit Pulses g(t)

/\r\ 4 2) 103
. (14)

~ f{t1)

2 13 1w t > T t 12 13 14 t

J I\Fourier Transform J {\ J I\
Input Spectrum Sampling Spectrum Sampled Spectrum
F(f) H(f) G(f)

I
) |
(%) |
|
i
$ 1

1 —f s= 1T 2fs f 1 fsl 1s f+ figeqt !

[ NYQUISTS THEOREM: fs-f1> 1 =)  fs> 21 |

Figure 2.8 - Time Domain and Frequency Domain Aspects of Sampling (Ideal Case)

Therefore, if sampling is done at a frequency at least twice as great as the maximum
frequency of the input signal, no aliasing will occur and all the signal information can be
extracted. This is Nyquist’'s Sampling Theorem which provides a basic criterion for the
selection of the sampling rate required by the convertre to process an input signal of a
given bandwidth.

In real sampling, however, the width of each sample is finite and this gives rise to a
modulation error of (sin x) / x. This error can be digitally compensated for prior to
reconversion of the samples back into digital form.

The other important fact to remember is that a real signal is not completely band limited.
The outer edges of the input signal spectra, though low in amplitude, will be aliased
back into the band of interest. To avoid the possibility of this alias interfering adversely
with the system performance two solutions are possible. The first is to increase the
sample rate so that less of the alias appears in band. The second is to add an anti-alias
filter in the signal path prior to the samplig stage. This band limits the input signal and
ensures that any resultant aliases are well below the level at which they might aversely
affect the signal. Increasing the sample rate will often require that a faster ADC is used
which is expensive. Consequently the addition of an anti-aliasing filter is often the most
cost effective method of avoiding the effects of aliasing. Sometimes a combination of
increased sampling rate and anti-aliasing filter is chosen to optimise performance.

Quantisation refers to the discrete nature of digitally represented signals. Because a
continuously variable analog signal has been replaced by a non-continuous series of
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digital code, a certain amount of information has been lost and distortion has been
introduced into the new representation of the original signal. This is called quantisation
noise.

3.3 Oversampling

An ADC which is sampling an input signal at the Nyquist rate (twice the maximum input
bandwidth) will produce a quantisation noise, or error, of q / (12)" (where q is the width
of one step of the converter) within the signal band of /2. This is illustrated in figure 2.9.
Comparing this quantisation noise with the amplitude of a sinewave input we find that
the theoretical signal to noise ratio (SNR) is given by the expression

Theoretical SNR = 6.02n + 1.76 dB
where n is the resolution of the ADC.

For example, the SNR of a 12 bit ADC has a theoretical upper limit of 74 dB.

The Benefits of Oversampling

Signal
Amplitude

Quantisation Noise Level

alfiz

Quantisation Noise Level

.................. ; / with n x oversampling

fa fs/2 f's n};/2 n‘fs Freq

Figure 2.9 - The Benefits of Oversampling

Using the same equation we find that the theoretical SNR of a 1-bit ADC, sampling at
the Nyquist rate, fs (2 x maximum input frequency of interest) is (somewhat surprisingly)
as high as 7.78 dB !
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If we now increase the sampling rate from fs to some multiple, nfs, we find that the same
total amount of quantisation noise is spread over a wider bandwidth, nfs/2 as shown in
figure 2.9. This has the effect of reducing the amount of noise in the signal band of
interest. The quantisation noise which now appears outside of the signal band can be
filtered out . This has the overall effect of increasing the resultant SNR in the band of
interest. Here then is the basis of oversampling. The benefits of oversampling are used to
produce excellent performance in sigma-delta converters,

3.4 Sigma-Delta Analog-to-Digital Converters

The earliest laboratory developments in sigma-delta converters (otherwise known as
delta-sigma converters) began several years ago. However the commercial potential of
these devices did not get become available until relatively recently when high speed
digital and analog integrated circuit capability began to merge in either single processes
or pairs of extremely compatible separate processes.

SIGMA-DELTA CONVERSION

Advantages & Disadvantages

Advantages

Inherently Monotonic

Excellent Linearity without Resistor Matching

No Missing Codes

Very compatible with digital I.C. processes

On-board Digital (FIR) Filter avoids need for sharp cut-off external anti-aliasing filter

Disadvantages

Long Delay Time of Digital Filter
Unsuitable for Multiplexed Input Applications

Figure 2.10 - Advantages and Disadvantages of Sigma-Delta Converters

Sigma-Delta converters have several advantages over alternative types of converter
although they do have a few disdavantages also. These are reviewed in figure 2.10.
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Sigma-Delta Converters - Functional Block Diagram

Anaiog
Input

Sample/Hold
Amplifier

Analog
Modulator

1-bit
wide

Digital
Filter

n-bits

| wide  pigital

Output

Figure 2.11 - Sigma-Delta Converter - Functional Block Diagram

The simplified structure of a sigma-delta ADC is shown in figure 2.11. The signal is first
applied to the input of a coarse sample/hold stage which steadies the input during
susequent bit conversions. It is then passed on to the analog modulator which converts
the analog signal into a serial bit stream.

The serial digital output from the analog modulator is then processed by a digital filter
which produces an average value of the data over several clock periods. Frequencies of
maximum noise rejection occur at fs/N, 2fs/N, 3fs/N etc. where N is the number of
samples in each average and fs is the sampling rate. Both N and fs can be selected to
produce maximum noise rejection at useful frequencies such as 50 Hz and 60 Hz.
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Ist Order Analog Modulator

Ditferential

Integrator
Amplifier

Comparator

S

Digital
Output

Figure 2.12 - 1st Order Analog Modulator

The actual analog to digital conversion process is performed by the analog modulator. In
its simplest form this consists of a differential amplifier, single integrator, comparator
and 1-bit DAC connected in a closed loop configuration as shown in figure 2.12 which
illustrates a 1st Order modulator. Athough continous time circuit techniques are implied
in figure 2.12, switched capacitor methods are typically used at the IC level to implement
the modulator structure. The analog modulator converts the analog input signal into a 1-
bit wide serial digital output. A timing circuit is often included at the output of the

modulator which synchronises its operation.

The modulator also shapes the quantisation noise within the signal frequency band. This
has the effect of pushing a significant percentage of the quantisation noise out of the

signal band where it can be filtered by the digital filter.
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Signal, Noise
Amplitude

The Effect of Noise Shaping

Signal

Response of
Digital Filter

/ Noise Rejected by

Analog Modulator 2nd Order Modulator

[ 1st Order Modulator

___________________________________ N Noise Rejected by
«—T_ Digital Filter
)

0

fs/2 nis/2 Freq.

Figure 2.13 - The Effect of Noise Shaping

The number of integrators which are included determines the order of the modulator.
The higher the order of the modulator the greater the amount of quantisation noise
which is pushed out of band. Higher order analog modulators enable increased resolution
converters offering enhanced single to noise ratios to be produced without needing to
increase the oversampling rate. The effect of noise shaping produced by 1st and 2nd
order modulators is shown in figure 2.13.

The idea of increasing the order of the modulator to a high number sufficient to achieve
the any desired resolution and SNR is an attractive one. Unfortuneately there is rarely
gain without some pain. Higher order modulators tend to be more difficult to stabilise.
Most sigma-delta converters tend to use modulators which are 5th order or less.
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3.5 TLC320AD55 Sigma-Delta AIC

TLC320AD55 - Sigma-Delta AIC

Features

Single 5V Power Supply

89 dB Dynamic Range

Serial Port Interface

14/16 bit Resolution

Anti-aliasing and Anti-imaging Filters
Differential architecture

Internal reference voltage (Vref)
Internal 64X oversampling

Applications
V.34 Modems

DSP Analog interface
Noise Cancellation

Power down mode (to 1 mW)
80 dB SNR
Phone mode output control
2's complement format
Programmable conversion rate
= MCLK/ (Fk x 256) , Fk = 1,2,3,....256

System test modes

- Digital loopback test

- Analog loopback test

Speech Processing
Industrial Process Control

Figure 2.14 - TLC320AD55 Features and Applications

The TLC320AD55 is a sigma-delta AIC which offers up to 16 bit resolution and in excess

of 90 dB SNR. Its principle features are shown in figure 2.14.
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TLC320AD55 Functional Block Diagram

INP Decimation Filter
INM ettt |
AUXP Sigma-Delta ! lsINC FIR |, DOUT
AUXM MUX ADC E Fiiter Filter ) R Butler (2's compiement)
' '
REFCAPAD ™Y SR
Vrel igital
LAnaLog . Ej Loopbag
oopbac <—- Enable [
RerFCAPDA

T )
outP g SCF  |e— Slgm;A-[éelta interpolation Bu oIN
Filter  |«—j Fift uffer
OUT™ er l (2's complement)

FCLK | wvo
Control

SCLK

Figure 2.15 - TLC320AD55 Functional Block Diagram

It includes a 4th order analog modulator and uses a differential architecture for the
analog signal path as shown in figure 2.15. This helps to reduce common mode noise and
distortion effects and significantly enhances the IC’s dynamic performance.

The TLC320AD55 includes separate on-board references for the ADC and DAC portions
of the device. The timing of the internal logic is derived from an external master clock
applied to the device at the MCLK pin. An analog input multiplexer is included which
allows signals from either the main input or an auxiliary channel to be processed.

In self-test mode the multiplexer channel can be selected to accept inputs from the DAC
output.

The TLC320AD55 operates at 64x oversampling rate. This simplifies any external anti-
aliasing filters which are needed to be included in the input signal path prior to the input
of the ADC. In fact a single pole low pass filter is normally sufficient for this task. the
TLC320AD55 interfaces readily to a wide range of Digital Signal Processors (DSPs)
including the industry standard TMS320 family.
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V.34 Modem Characteristics

Maximum Data Rate 28,800 bits/sec on GSTN
Many Data Signalling Rates Supported 2,400 - 28,800 in multiples of 2,400
Probing Tone at Start of Connection Allows two V.34 Modems to adjust themselves to each

other and to the characteristics of the line to provide the
highest possible data transmission rate

Auxiliary Channel 200 bits/sec
QAM Modulation Uses 960 point constellation
Transmit Pre-emphasis Filter Filter Characteristics selected by remote modem to

compensale for amplitude distortion

Figure 2.16 - V.34 Modem Characteristics

This high performance sigma-delta AIC is suitable for a wide range of applications
including noise cancellation and speech processing. However it was designed specifically
to meet the performance demands of V.34 modems. Previously dubbed V Fast, the V.34
specification has now been formally adopted by the ITU. Some of the more important
features of this standard are shown in figure 2.16.

The V.34 modem can transmit and receive data at a maximum rate of 28.8 kBits per
second over the general switched telephone network (GSTN). This is achieved by a
combination of quadrature amplitude modulation (QAM) and trellis coding. The data is
coded into any one of 960 points on a QAM superconstellation. A high degree of
“intelligence” has been incorporated into this modem standard. For example the carrier
frequency to be used is determined during the start-up phase of the modem. This will be
influenced by the bandwidth characteristics of the line and the error rates measured
during the start-up phase. During this phase a complex probing tone is sent to the far
end modem. The results gained from this probe are then returned from the far end. The
combination of symbol rate and carrier frequency are then selected to match the quality
of the line and the modems connected to it.
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V.34 Modem - Functional Block Diagram
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Figure 2.17 - V.34 Functional Block Diagram

Other features of the V.34 modem include full duplex or half duplex operation,
preemphasis and auxiliary data channel. Most of the data coding and modulation is
performed digitally by the DSP. However the data to be transmitted eventually has to be
converted into analog form by a DAC in order to be sent over the GSTN. Conversely
received analog data must be converted into digital form by an ADC in order to be
processed by the DSP. The TLC320AD55 includes both these converter functions and an
efficient interface to the DSP. The contribution which the TLC320AD55 makes to the
analog “front-end” of the V.34 modem is illustrated in figure 2.17. The ADC, DAC, and
efficient interface to the DSP are all included on the AIC. As can be seen, the majority of
the signal processing is performed in the digital domain by the DSP.
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4 TLC320AD55 Evaluation Board

4.1 Introduction

The next part of this section of the seminar has been supplied by John Walliker and
Julian Daley of University College, London who have developed an evaluation board for
the TLC320AD55.

411 Aims

The objective was to design a development board (the AD55-EVM) which would allow
prospective users of the TLC320ADAD55 to determine its capabilities with a minimum of
effort. The board can be directly connected to the inexpensive TMS320C5x DSP Starter
Kit (DSK5x), or to any other system with a compatible synchronous serial interface.
Directly compatible DSP devices include the TMS320C2x, C3x, C5x and many products
from other companies. Some of the main features of the evaluation board are shown in
figure 2.18

TLC320AD55 Evaluation Board

Features

Easy to use with TMS320C25 DSK Evaluation Board or other systems

Example software listings available for DSK

On-board clock oscillator provides convenient sampling frequencies (eg. 8 kHz, 16 kHz)
High quality circuitry demonstrates full performance of TLC320AD55

Phone Mode I/P and O/P bit

Single ended and differential signal capability

Single 5-V supply

Selectable gain I/P pre-amplifier

Figure 2.18 - The TLC320AD55 Evaluation Board Features
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Example programs are provided for the DSK5x development system which allow the
board to be used as a sine or sawtooth waveform generator, or to output on the DAC
samples read in from the ADC. In this echo mode signal processing functions such as
filtering can also be carried out.

The evaluation board was also interfaced to a Loughborough Sound Images TMS320C25
development board and this was used to transfer analogue data to a personal computer
running real-time FFT spectrum analysis software. This system was used to prepare the
ADC and DAC spectrograms shown in this seminar.

4.1.2 Overview AD55-EVM Evaluation Board

The TLC320AD55 is a sigma-delta AIC with many features that make it suitable for DSP
based applications

Single 5-V supply

Better than 80dB signal to noise

Software programmable sampling rate

Serial interface

Small package size

The AD55-EVM was designed to demonstrate the advantages of the TLC320AD55 for
DSP based applications.

Figure 2.19 shows a block diagram of AD55-EVM. The input signal is first buffered and
optionally amplified by the preamp stage before being level shifted and converted to a
differential pair of signals. The anti-aliasing filter is a simple continuous time filter to
remove rf noise. The output from the codec is converted to a single ended signal and is
filtered to remove noise generated by the codecs switched capacitor reconstruction filter.
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TLC320AD55 Evaluation Board

Block Diagram
TLC320AD55 TMS320
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Figure 2.19 - TLC320AD55 Evaluation Board Block Diagram

A negative power supply is generated on the AD55-EVM to allow for dc coupled input
and output signals. The clock signal for the codec can be generated by an oscillator on
the board, or from an external clock. The TMC320AD55C is reset by decoding a block of
1/0 addresses.

4.1.3 Special considerations when using sigma-delta converters.

Sigma-delta analogue-to-digital converters consist of a 1-bit ADC (a comparator)
combined with a high order modulator (fourth order in the case of the AD55) and digital
filters in a feedback system. The ADC is clocked much faster than the desired output
sampling frequency, (usually 64 times) and the large amount of quantisation noise
generated is uniformly spread over a wide range of frequencies. A noise shaping filter
reduces the noise in the passband, increasing it elsewhere. A low-pass filter then
removes the unwanted high frequency quantisation noise and the signal is resampled at
the desired output frequency.

Sigma-delta converters have some practical differences to other types of ADC, some
generally advantageous, some not so.

Advantages:

The technique is inherently linear because there is no reference resistor chain as for
example in flash or successive approximation converters. This results in extremely low
distortion, which can easily be dominated by that of associated op-amps. Non-
monotonicity does not occur with sigma-delta converters and there are no missing codes.
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The digital filter which forms an integral part of the ADC is of the finite impulse
response type which gives a linear phase response to the AD55. This filter avoids the
need to provide a sharp cutoff anti-aliasing filter external to the AD55. However, a
simple RC filter is needed to remove noise at the oversampling frequency and its
multiples, where there are windows of full sensitivity with width + Fsamp/2. If ceramic
capacitors are used for this filter they should be of the COG or NPO dielectric type.
Significant distortion can be introduced by the voltage dependent capacitance of other
types of dielectric.

Disadvantages:

The digital filter has a relatively long time delay of about 15 samples which corresponds
to 1.9 ms when operated at 8 k samples per second. This makes the device unsuitable for
some control applications where this delay could cause system instability.

It is not practical to multiplex several inputs to one AD55 except at very low rates,
because each channel would be corrupted by the earlier samples from other channels still
propagating through the filter. In particular, note that although the AD55 has an input
multiplexer this is only for selecting one or another input, not for interleaving two input
channels onto one data stream.

The AD55 is optimised for AC signals and a small dc offset may be present.

4.1.4 Board Construction

The AD55-EVM printed circuit board is of a 4 layer construction with ground and power
planes. This minimises the coupling of rf noise into the system by providing very low
impedance to power and ground, and by shielding signal tracks. The AD55 is available in
two surface-mount packages, the DW and DGG. Both have a similar footprint size, but
the DGG is much thinner (only 1.2 mm high) and has 64 pins at a pitch of 0.5 mm,
making it very suitable for PCMCIA and other miniature applications, but extremely
difficult to hand solder. For prototype evaluation, we would strongly advise using the
DW package, which only has 28 pins at a pitch of 0.05 inch and so is much easier to
handle. We used surface-mounted components except for the connectors which are more
robust when through-the-board mounted.

The printed circuit board is the same size as the DSK board. The AD55-EVM and the
DSK can be stacked one above the other using inter-board links. The DSK should be on
top, because its smoothing capacitors are relatively tall and also to improve access to the
XDS510 emulator connector. If access to the top side of the AD55-EVM board is needed,
for example to probe the circuit with an oscilloscope, then the boards can be placed side-
by-side and interconnected using insulation displacement connectors and ribbon cable.
Ribbon cables should be as short as possible, preferably less than 10cm .

A separate connector has been provided for interfacing to systems other than the DSK.
This brings out the SCLK, FS\, DIN, DOUT and RESET\ signals. Each signal is
interleaved with a ground conductor in the ribbon cable, allowing a longer cable length
without crosstalk. Nevertheless, this cable should be as short as reasonably possible
since ringing in the unterminated cable may become excessive for lengths greater than
about 0.5m. This connector must not be used simultaneously with the connections
around the edge of the AD55-EVM board that are specifically intended for the DSK.
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4.1.5 Power Supply

The AD55-EVM board requires only +5-Vdc; a -5-V supply for some of the op-amps is
generated on the board using a CMOS '7660 charge pump phase-locked to the frame sync
output of the 'AD55. This eliminates the risk of audible beats between the sampling clock
and the '7660. The OSC pin of the '7660 is coupled to frame sync by a small capacitor of
about 100 pF. This method allows the 7660 oscillator to free-run when there is no frame
sync, ensuring that the negative power is always maintained, even when the 'AD55 is
held reset. The "7660 divides the signal on the OSC pin by 2 internally, ensuring that the
charge pump operates at a 50% duty cycle, even with a grossly asymmetric input such as
that provided by frame sync. Not all negative supply generators contain a divider -
check before using any other type!

The 9-V ac transformer currently recommended for powering the DSK is not able to
supply both the DSK itself and the AD55-EVM without intreducing significant supply
ripple because of the relatively small 1000 uF smoothing capacitors on the DSK board.
This can be overcome by either increasing the transformer voltage (ensuring that the
peak voltage does not exceed the voltage rating of the capacitors and that the regulators
do not overheat) or by replacing the 1000 pF smoothing capacitors on the DSK with taller
but otherwise compatible 2000 uF, 25-V replacements (e.g. Philips xxxx). Both of these
options may invalidate the DSK warranty. The safest solution is to use a +/-5-V dc
regulated power supply and connect it to the appropriate pins on the DSK board. The
circuit diagram and pinouts of the DSK are in the DSK manual.

If the AD55-EVM board is used independently, a well regulated +5Vdc supply should be
connected to the power input header pins. No separate negative supply is needed.

2.31



1995 Linear Design Seminar

4.2 Analog Input

4.2.1 Preamp design

This amplifier stage, illustrated in figure 2.20, allows the use of either a line level input
or a low level input. With the link labeled ‘GAIN’ removed the preamp has unity gain
from DC to approximately 20 kHz. With this link inserted the preamp gain is increased

by approximately 20dB.

The signal can be ac coupled if required by removing the link labelled DC. The use of two
tantalum capacitors “back-to-back” allows either a positive or negative DC voltage bias

at the input.

Input Preamp (ADS55 Evaluation Board)

bC

1K Gain
Input Hﬁ l l l
+1-1:5 Vep 100uF  100uF 10K
Tant Tant

To Input Stage

12 TLC2272
100nF

Figure 2.20 - TLC320AD55 Evaluation Board - Input Preamp
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This preamp uses the op amp in the inverting configuration to ensure that the input
common mode range of the op amp cannot be exceeded, since both inputs are always at a
voltage close to ground. In the non-inverting configuration the op amp inputs can
approach the supply rails, creating distortion.

4.2.2 Input stage design

To realise the full potential of the AD55 it is important to take care over design of the
input stage. The codec uses differential inputs biased at 2.5 V and maximum code is
generated for + 1.5 V. The function of the input stage is to do the necessary level shifting
and single-ended to differential conversion. There are various ways of producing the
necessary signals, not all of which produce optimum results.

4.2,21 Design 1.
Figure 2.21 shows a simple, single op amp, single supply input stage design.

Single Supply Input Stage (AD55 Evaluation Board)

10K

10K

From O/P m
of preamp 100 uF INM
Tant
—_ TLC320ADS55
INP
REFCAP
ADC
18K
100 nF

1/2 TLC2272 ™ !
100 nF 82K

Figure 2.21 - Single Supply Input Stage (TLC320AD55 Evaluation Board)

The input signal is ac coupled by the 100 uF input capacitor and is level shifted to 2.5 V
by one half the dual op amp. The other half of the op amp provides a buffered 2.5-V
supply. There are some advantages to this circuit but they are outweighed by its
disadvantages.

Advantages
The entire circuit can be driven from a single rail power supply

Simple design
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Disadvantages

The input must be ac coupled in order to allow the level shifting required for the single
supply AIC.

The TLC320AD55 has differential inputs which are desighned to provide immunity from
noise and interference. To take advantage of this feature it is necessary to ensure that
any noise (A) at the reference voltage point appears equally on both differential inputs. In
this circuit the +ve input sees the noise directly whilst the -ve input sees the noise
amplified by 2, giving a differential signal of A -2A=-A

Can only produce 50% of the differential voltage needed for maximum input. This
effectively reduces the signal to noise ratio and dynamic range by 6dB.

Note: This design should only be used where noise performance is not an important
consideration.

4.2.2.2 Design 2.

The problems with the previous design can be overcome if a negative supply is provided.
Figure 2.22 shows a dual supply input stage design.

Dual Supply Input Stage (ADS5 Evaluation Board)

INP
1/2 TLC2272
l_ihnoo nF
SV TLC320ADS55
10K
10K
° - i
1/2 TLC2272 INM
. 100 nF 12 TLC2272
= sV = REFCAP
ADC
56K
100 n¥

1
,J

Figure 2.22 - Dual Supply Input Stage (AD55-EVM Board)

Advantages
Can be dc coupled if required to extend low frequency response.
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Can produce maximum input to codec allowing full use of the device’s dynamic range.

Noise on Vmid does not appear across inputs. In this design both inputs see in-phase
Vmid noise of 2A, producing a net result of 0.

Disadvantages
Needs a negative supply

Note: This is the design of choice for maximum performance.

It is recognised that this device is likely to be used in predominantly digital designs,
powered from a single +5-V supply, where the need for a negative supply could be
perceived as a problem. However, since the current drawn from this negative supply will
be small, it is possible to use an inverter chip to provide a local negative rail for the op
amps. The 7660 device requires no external inductors and just 2 external capacitors. Its
internal clock can be synchronised to the codec’s sampling clock, ensuring that any noise
generated by the 7660 appears on the codec’s output as a DC offset rather than noise.
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4.2.2.3 Op amp selection

The design of the input stage uses op amps in the inverting configuration. This has the
advantage of keeping both inputs at the reference voltage, preventing problems with
input common mode range.

Except for the first preamp stage, all the op amps have unity gain. This means that noise
performance of most op amps is adequate. The difficult parameters to meet are output
voltage range and output drive capability.

For a full scale signal the outputs of the op amps that drive the ADC inputs of the 'AD55
will reach 4.0 V. Many op amps will not behave well at this output level with a 5-V
supply (in fact we tested the system at 4.75 V to allow for the minimum rated power
supply voltage of the AD55).

Miniature systems often require that analogue and digital circuits are in close proximity
to each other. This can lead to problems where radio frequency interference from clock
signals or DSP bus lines is demodulated by opamps, leading to an increased dc offset. If
the rf is modulated, then that modulation may appear at the op amp output. CMOS and
BiFET opamps can be more resistant to demodulating rf than bipolars, but if this is likely
to be a problem then you should evaluate the devices you plan to use. Take particular
care to keep digital signals away from analogue ones, and be generous with power supply
decoupling and filtering. Power planes help a great deal in reducing system noise.

The anti-aliasing filter presents a significant capacitive load which many op amps will
not drive without slew-rate limiting, causing distortion of high amplitude high frequency
signals.

The authors chose the TT device TLC2272 which is a LinCMOS dual op amp designed for
single supply operation. It has full rail to rail output swing and an adequate output drive
current.
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4.2.3 Anti-aliasing filter

Sigma-Delta converters have the advantage of providing anti-aliasing filtering as an
integral part of their operation. However this filtering has ‘holes’ in it, at multiples of the
oversampling frequency. The TMC320AD55C is a 64 times oversampling converter so for
a sampling rate of 8 kHz the first ‘hole’ will be centred at 512 kHz (and will be 8 kHz
wide). It is important to ensure any energy at this frequency is not present across the
inputs to the codec. A simple single pole RC filter is sufficient. Two filter configurations
are possible, as shown in Figure 2.23.

Anti-Aliasing Filter CAD55 Evaluation Board)

1/2 TLC2272 1/2 TLC2272
330R
INP INP
24 nF TLC320AD55 i TLC320ADSS
330R
INM
——1INM
2 .C2272 eent
1/2 1LC2272 L
a.) b.)

Figure 2.23 - Anti-aliasing Filter Options (AD55-EVM Evaluation Board)

Figure 2.23a gives good rejection of differential noise signals but common mode noise is
not removed. Figure 2.23b gives good rejection of common mode noise signals and, if the
capacitors and resistors are well matched, good rejection of differential noise.

Since most noise sources are likely to be coupled equally into both inputs the filter in
Figure 2.23b is usually the best choice (the evaluation board has footprints to allow for
either or both configurations).
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4.2.4 ADC Results from AD55-EVM Evaluation Board

To evaluate the performance of the ADC side of the AD55-EVM two key measurements
were performed. To assess signal-to-noise ratio (SNR) the true RMS value of the noise
received with no input was measured. This measurement was achieved by connecting the
AD55-EVM through the serial interface to a DSP development board in a PC. Data could
be transferred to the PC’s memory for display and measurement.

The RMS value of the noise measured in this way was 0.8 least significant bits (LSB).
The RMS value of a full amplitude sine wave is  2'°/(2V2) .
Therefore Signal to Noise Ratio = 20 * log( 0.8/23170) = 89dB

TLC320AD55
ADC Distortion and Noise Measurement

Level relative to full scale input (dB)

;:aa

4120 |
-130
o 2000 4000 6000 8000 10000 12000 14000 16000 18000 20000
Frequency {Hz)

Input signal 1.02kHz, -1.0dB  FFT: 2048 frequency bins, 40kHz sampling, 16 averages.

Figure 2.24 - ADC Distortion Measurement (TLC320AD55)

The second measurement is used to assess the distortion and spectral noise density of the
system. Figure 2.24 shows an FFT plot obtained from the ADC of the AD55-EVM. The
input signal was a 1.02-kHz sine wave at -1.0dB relative to maximum input. An
HP33120A function generator was used together with a passive tuned LC filter to
produce a sine wave with better than 0.001 % distortion. The FFT shows a second
harmonic peak at -100dB and a 3rd harmonic peak at -95dB. The noise spectral density
floor is better than 120dB below maximum for most of the pass band. The slight rise in
the noise floor above 15 kHz is due to the digital noise shaping filter associated with
sigma-delta converters. The noise drops off above 18 kHz due to the internal digital filter.

In summary, the AD55-EVM is an acquisition system with very low distortion and noise
performance.

2.38



Analog Interface Circuits

4.3 Analog Output
4.3.1 Differential Output Amplifier

Differential to Single Ended Converter
(ADSS5 Evaluation Board)

TLC320ADS5

10K
ouTM —WA

ouTP "
10K
10K

Figure 2.25 - Differential to Single-Ended Converter (AD55-EVM Evaluation Board)

The differential to single-ended converter in Figure 2.25 uses the classic differential
amplifier configuration. To get good rejection of common mode noise the four resistors
must be well matched. A simple way of getting good matching without having to use
expensive 0.1% tolerance resistors is to use a thick film resistor pack. The absolute value
of the resistors is not necessarily well specified but the resistors are generally well
matched.
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4.3.2 High frequency noise filter

Low Pass Output Filter
(AD55 Evaluation Board)

i/

_ Output
j(Max 2 mA)

Figure 2.26 - Low Pass Output Filter (AD55-EVM Evaluation Board)

The TLC320AD55 has an internal low pass switched capacitor filter (SCF) on the output
of the sigma-delta DAC. A continuous time low pass filter, connected to the analogue
output of the 'AD55, is included on the evaluation board to remove high frequency noise
associated with the SCF clock. The filter design, shown in figure 2.26, is a simple two
stage cascaded RC network.
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4.3.3 DAC Results from the AD55-EVM Evaluation Board

The DAC was characterised in its default state using a sine wave table lookup program
running on a TMS320C5x DSK coupled to an AD55-EVM. This gives 10k samples per
second using the 20.48 Mhz oscillator on the EVM. The DAC runs in 15-bit mode by
default in order to allow secondary communication.

TLC320AD55
DAC Distortion and Noise Measurement

Level relative to full scals input (dB)

2 WNW
-130
o 2000 4000 6000 8000 10000 12000 14000
Frequency (Hz)

1.25kHz sine wave produced by DAC of AD55 al 10k sa/s, -6dB re full scale
FFT: 2048 frequency bins, 26.7kHz sampling, 16 averages.

Figure 2.27 - DAC Distortion Measurement (TLC320AD55)

Figure 2.27 shows an FFT plot of the output from the AD55-EVM. This was measured
using a second AD-55EVM running at 26.7 samples per second coupled to a DSP
development board in a PC. This sampling frequency was chosen so as to display the first
image frequencies in the output from the EVNM at 8.75 kHz and 11.25 kHz. These
images are the digital-to-analog equivalent to aliases in the analog-to-digital conversion
and have been attenuated by the switched capacitor reconstruction filter. There are
harmonics present that may be due to rounding errors in the sine wave generation look-
up table. There are some low frequency peaks in the FFT which we believe are caused by
power suppy ripple.

The signal to noise and distortion are well within the specifications for the TLC320AD55.
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4.4 Clocking the AD55

All timing in the AD55 is derived from the master clock input, MCLK. This is fed to two
programmable dividers. One (Fk) controls the sampling and filter frequencies while the
other (Fsclk) controls the serial communication speed. When the AD55 is reset, both
dividers default to 8. This means that the effective sampling frequency defaults to 8.0
kHz with an MCLK of 16.384 Mhz, 10 kHz with an MCLK of 20.48 or 16.0 kHz with an
MCLK of 32.768 MHz. If the required sampling frequency can be obtained using the
default division ratios, then it may not be necessary to carry out any initialisation of the
AIC. Otherwise, the dividers must be programmed appropriately after the 'AD55 has
been reset.

If possible, the 'AD55 and its associated digital signal processor should be phase locked to
the same clock. This minimises the audibility of beat signals between radio frequency
noise radiated from the dsp and the sampling clock, because the beats will generally alias
to dc.

Although sigma-delta converters are inherently more resistant to jitter induced noise
than other types of converter the clock source should be as jitter free as possible to avoid
broadening the spectrum of the input signal. The on-chip phase locked loops in DSPs can
introduce significant phase jitter, possibly because of their close proximity to sources of
digital noise. Therefore, if the clock for a DSP device is being generated by means of a
phase-lock loop frequency multiplier, such as that in the TMS320C50, the AD55 MCLK
should be driven directly by the crystal oscillator, not by the CLCKOUT1 signal from the
'C50.

If, however, the frequency multiplier is not used, and the processor clock is internally
divided by two before being fed to CLKOUT1, then this signal can be used to clock the
ADS55 because the divider does not introduce significant jitter.

The AD55-EVM board allows several clocking options:
MODE 1:

The 20.48 MHz crystal oscillator on the AD55 board is used to clock MCLK. This gives a
default sampling frequency of 10 kHz and also allows useful sampling frequencies such
as 8, 16, 20 and 40 kHz to be set using the programmable dividers. By setting jumpers
on the AD55 board one can force the 'C50 in the DSK to use the 20.48 MHz clock
connected to CLKIN2 in preference to the 40MHz oscillator connected to X2/CLKIN.
This is done by pulling CLKMD1 high so that the 'C50 doubles the clock to 40.96 MHz.
This mode should, if possible, be used when any other dsp system is interfaced to the
AD55-EVM board and is recommended for most purposes.

MODE 2 :

The 40 MHz oscillator on the DSK board is divided by 2 in the ‘C50 and output to
CLKOUT1. This drives the 'AD55 MCLK. The default sampling frequency is  9.765625
kHz and sampling frequencies which are a whole number of kHz cannot be generated
exactly. Had the DSK been provided with a 40.96 MHz oscillator, sampling frequencies
of 8, 10, 16, 20 and 40 kHz would have been achieveable and this would have been the
preferred mode of operation because an extra oscillator would not have been needed.
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MODE 3 :

As mode 1 above, but MCLK is driven by CLKOUT1 of the 'C50. Not recommended
because of the possible introduction of phase jitter into MCLK by the phase locked loop.

MODE 4 :

As mode 1, but C50 is clocked from its 40 MHz oscillator. Not recommended because of
the possibility of audible beats between the clock sources.
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4.5 Resetting the TLC320AD55

The TLC320AD55 is automatically reset at power-on. It can also be reset by applying a
low level on the RESET\ pin or under software control by programming bit 7 of control
register 1 using secondary communication. The reset signal is latched by the MCLK
input and stretched internally to at least 6 MCLK cycles. Whatever the reset source, all
the internal registers are set to their default values and only need to be changed if the
defaults are unsuitable for the particular application.

The AD55 is held in a reset state for as long as RESET\ is low, with frame sync out high
and serial clock out low. When RESET\ is released, the serial clock output begins and
the falling edge of the first frame sync out occurs 46 rising serial clock edges later. There
will be a further delay of 1.9 ms (at 8 kHz sample rate) associated with the digital filters
within the AD55 before valid output data becomes available.

This timing is significant because of the way that the synchronous serial ports in some
dsp devices such as the TMS320C50 operate. If frame sync is high when the serial port
of the C50 is released from reset, a data transfer will be immediately initiated, whereas if
it is low this will not happen. This is further complicated for C50s with revision 1 silicon,
such as that currently supplied with the DSK5x, because the first word of data
transmitted after a serial port reset with frame sync high may be random.

To prevent intermittent errors in programming the registers when using the current
version of the DSK5x, it is necessary to 1) reset the 'AD55, 2) reset and release the 'C50
serial port, 3) wait for first data transfer to complete, 4) reset the 'AD55 again, 5)
program any 'AD55 registers that need to be changed from the default values.

To facilitate this we have provided a programmable reset for the 'AD55 board when used
in conjunction with the DSK. Address bits A1, A2, A3 and the IS\ and WR\ signals are
decoded and fed to RESET\ of the 'AD55. Writing to output port zero, will therefore send
a reset pulse to the 'AD55. This can, if necessary, be stretched by setting extra wait
states for port zero in the wait state configuration registers of the 'C50. We were not able
to use the reset method provided for the codec on the DSK5x because the BR\ signal is
not brought out to a connector on the DSK

With revision 2.x or later TMS320C5x family silicon the reset input can be connected
directly to the system reset, so long as all the processor initialisation is completed before
the first frame sync pulse goes active low. This occurs after 46 serial clock cycles at the
default sampling frequency. If this condition cannot be met, then the RESET\ input
must be directly controlled by the processor. However, the double reset described above
is NOT needed with rev. 2.x or higher 'C5x devices.

4.6 Serial Port Interfacing

The AD55-EVM is designed to be used in one of the following two ways and as described
in section 4.1.4.
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1.) A DSK5x DSP board can either be stacked on top of the AD55-EVM board using inter-
board connectors, or the boards can be placed side-by-side and interconnected with short
ribbon cables. Only a few ground signals are brought out from the DSK5x and very fast
'C50 clock and bus signals are transmitted between the boards. Therefore the
interconnecting cables should be very short, prefereably no more than 10 cm.

2.) Alternatively, the AD55-EVM can be used in standalone mode and connected to other
DSP systems such as PC plu-in development boards. A special connector is provided for
this purpose which brings out the 'AD55 serial port and reset signals. Every signal is
interleaved with a ground, allowing much longer ribbon cables, up to about 100 cm long,
to be used reliably.

The TLC320AD55 communicates with its associated digital signal processor by means of
a standard synchronous serial interface. Data transfer is controlled by the clock output
from the 'AD55 which controls the operation of the serial port in the DSP. Frame
synchronisation and serial data signals are sampled by the DSP on the falling edge of the
clock. Each data transfer begins on the falling edge of the frame sync which remains low
until all the data bits have been transmitted. It is particularly important that the clock
signal is of high quality at the input to the DSP.

Two problems can occur if long interconnecting cables are used without proper
termination and buffering. The first is ringing which, if severe, can exceed the logic
threshold and cause incorrect clocking or even damage to the inputs of the devices. The
second is excessively slow rise and fall times on the clock which can also cause spurious
clocking, either because of oscillation in the input circuit of the serial port or increased
susceptibility to noise. In either case the effect is that data may be clocked in on both
edges of the clock, causing intermittent corruption of the transmitted and received data.

The rise and fall times of the serial clock at the paralleled transmit and receive clock
inputs to the TMS320C50 on the DSK5x, when driven through 10 cm of ribbon cable,
were measured. The measuremment was made with an HP5452A 2 Gigasamples per
second digital oscilloscope using HP1144A 800 MHz FET probes. Thresholds of 0.8 V and
2.0 V were used, corresponding to the low and high thresholds of the 'C50. The following
results were obtained.

Cable Length tase tearr
10 cm 0.6 ns 2.6 ns
100 em 1.5 ns 55ns

The maximum serial clock input rise and fall times for a 40 Mhz 'C50 are :

tuse = 818
t

The rise and fall time measurements for 10 cm cable were made at the 'C50 serial clock
input pins on a DSK5x system while the 100 cm measurements were made at the input
to a development board in a PC.

s, = 808

These measurements show that the serial clock quality is acceptable even with 1 metre of
ribbon cable at room temeperature. However for reliable operation over the full
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temperature range and in the presence of noise the cable length should be kept as short
as possible.

Note that the interconnections between the DSK and the AD55-EVM contain much faster
signals without interleaved grounds and should not be much longer than 10 cm.

4.7 Programming the AD55 registers

Programming the internal registers is achieved by means of secondary serial
communications interleaved between the primary data transfers. A secondary transfer
can be requested in one of two ways:

1. By applying a high level to the FC input pin where it is latched by the 'AD55 on the
rising edge of a primary communications frame sync pulse. Although this method
requires a programmable output bit it has the advantage that full 16-bit data can always
be transmitted to the 'AD55 DAC. If the FC input is held continuously high, then
secondary communications will be interleaved between every primary communication.
This may be useful if the ALTDATA input bit is to be monitored, but it increases the
software overheads by doubling the serial port interrupt rate.

2. By setting bit zero of a transmitted data word. This method is simpler because no
extra hardware output bit is needed, but limits the audio data transfers to 15-bit
resolution. 16-bit transfers can be selected by programming bit 0 of register 1, but once
this has been done further software requests for secondary communications cannot be
made, so the flag I/0 signals are not accessible.

In each case, the request generates only one secondary communication immediately after
the primary communication in which it was initiated.

It is important that the clock dividers are set in such a way that there is sufficient time
for the secondary communications to be interleaved between primary communications.
This is most easily achieved by setting the serial clock register to the same value as the
sample clock register (register 4) to the same value as the sample clock register (register
3).

4.7.1 The AD55 Registers

The individual register to or from which data is to be sent is selected by a 3-bit address in
bits 10, 9 and 8 of the 16 bit secondary communication. Bit 13 high selects a read cycle,
low selects a write. The bottom 8 bits contain the data to be read or written.

Register 0: No Operation

This does nothing, but can be useful because it provides a means of making dummy
secondary communications that don't change any registers if, for example, the FC input
is hardwired high.

Register 1: Control 1

Used to select 15/16-bit output mode, analogue and digital loopback, output gain, input
signal source, software powerdown and software reset. Note that once 16-bit mode has
been selected it is no longer possible to make software requests for further secondary
communications.

2.46



Analog Interface Circuits

Register 2: Control 2

Used to bypass the interpolator and decimator filters, enable phone mode, set FLAGO
and FLAG1 output pin values and test for decimator FIR filter overflow. The filters
should not normally be bypassed except for test purposes, or perhaps in control
applications where the system delay time must be minimised at the expense of possible
aliasing and a sinc(x) frequency response. The flag bits are ignored unless phone mode
has been enabled.

Register 3: Fk divide

The sampling rate of the converters is MCLK / (Fk * 256). The default register value is 8
and the possible range is 0 to 255. A value of 0 is interpreted as 256. The devices we
measured would sample at up to about 80 kHz, although operation at such speeds
resulted in increased distortion and greatly increased de offset.

Register 4: Fsclk divide

The serial clock frequency is MCLK / (Fsclk * 2). The default register value is 8 and the
possible range is 0 to 255. A value of 0 is interpreted as 256. Normally Fsclk should be
set to the same value as Fk. This will ensure that exactly one serial data transfer occurs
for each sample. Other ratios between the two can result in samples being missed or
multiple values being transmitted for one sample. It is also important to ensure that
enough time is allowed for any secondary communications to take place if Fsclk is less
than Fk. Take care also to ensure that the maximum clock speed for the DSP serial port
is not exceeded. For example, if MCLK is driven from CLKOUT1 of a 'C50, then the
minimum serial port cycle time of 5.2H ns is maintained so long as the contents of Fsclk
is not less than 2. See section 3.3 of the TLC320AD55 data manual for a more detailed
explanation.

Register 5: Control 3

The only function of the control 3 register is to disable or re-enable the DAC reference.
This allows an external reference to be used instead of the on-chip one to scale the output
voltage range.

(Note:  H - Half Cycle Time of TMS320C50)
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5.1 Introduction

Many audio systems require either the analog-to-digital or digital-to-analog converter
function but not both. Separate ADCs and DACs exist to service these applications. Some
of these converters have efficient digital interfaces which give them certain similarities to
the AICs discussed previously. Texas Instruments manufactures a range of separate
audio converters which complement the AICs. Their main features are summarised in

5 Audio Converters

figure 2.28.
Analog Interface Circuit/Stereo ADC
Selection Guide
Device Configuration  Resolution Bandwidth Sample Rale Power Supply Max Power
(Bits) (Hz) (KHz) Dissipation
TLC32040 Diff Input AIC 14 300-3600 19.2 +/-5V 430 mW
TLC32041 Diff input AIC 14 300-3600 19.2 +1-5V 430 mW
TLC32044 Diff Input AIC 14 100-3800 19.2 +/-8V 430 mwW
TLC32045 Diff Input AIC 14 100-3800 19.2 +/-5V 430 mW
TLC32046 Diff Input AIC 14 300-7200 25 +/-5V 430 mW
TLC32047 Diff Input AIC 14 300-11400 25 +/-5V 430 mW
TLC320ACO1 Diff Input AIC 14 0-10,800 25 + 5V 110 mwW
TLC320AC02 Diff Input AIC 14 0-10,800 25 + 5V 110 mwW
TLC320AD55  Sigma-Delta AIC 16 0-4,000 10.3 +5V 175 mW
TLC320AD57  Stereo Audio ADC 18 30-21800 48 + 5V 220 mW
TLC320AD58  Stereo Audio ADC 18 30-21800 48 + 5V 200 mW

Figure 2.28 - AIC and Audio Converter Product Range
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5.2 Analog-to-Digital Converters

5.2.1 TLC320AD57 Sigma-Delta Stereo Analog-to-Digital Converter

The TLC320AD57 stereo analog-to-digital converter is specified to meet the requirements
of a broad range of CD (compact disc) quality audio applications as indicated in figure
2.29. The device offers excellent dynamic performance and ease of digital interface
through a single serial data output and operates from a single 5 volt supply.

TLC320AD57
Sigma-Delta Stereo Analog to Digital Converter

Features

Single 5-V Power Supply

Sample Rates up to 48 kHz

18-bit Resolution

Signal-to-Noise (EIAJ) of 97 dB (Typ), 93 dB (Min)
Dynamic Range ot 95 dB (Typ), 91dB (Min)

Total Signal-to-Noise+ Distortion of 91 dB

Internal Reference Voitage (Vref)

Serial Port Interface

Differential Architecture

Operating Mode ............ 200 mW Power Dissipation (Typ), 300 mW (Max)
Power Down Mode ....... 700 pW Power Dissipation (Typ)
Applications

Digital Audio Tape (DAT) Recorders
Digital Audio Mixers

Audio Processing

Voice Recognition

Noise Cancellation

Figure 2.29 - TLC320AD57 Stereo Audio ADC - Features and Applications

Each channel of the TLC320AD57 stereo ADC contains a 64 times oversampling sigma-
delta modulator as shown in figure 2.30. Each modulator is followed by a divide-by-64
decimation filter and a subsequent high pass filter which may be bypassed by asserting a
high level on the HYBPyp pin of the device. Bypassing this high pass filter allows the
converter to handle frequencies down to dc, should that be required.
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TLC320AD57
Sigma-Delta Stereo Analog-to-Digital Converter

Functional Block Diagram

INLP Sigma Deita F}_J Decimalion High Pass .
INLM Modulator Filter nd Fiher pouT
|— Fsync
REFO VREF [«
reF SERIAL LRCIk
INTERFACE
INRP ~—————————————| Sigma Della Decimation High Pass
INAM Modulator 1| Filter Filter
[ T ——» OSFR
> OSFL
MCLK —»] —T—-—‘
CMODE —»{ CONTROL
MODEO SCLK
- MODE2

Figure 2.30 - TLC320AD57 Stereo Audio ADC - Functional Block Diagram

Both left and right channel digital conversion results are output serially from a single
data output pin DOUT. The left and right channels’ results can be interleaved by
sequentially toggling the left/right clock pin LRCIk. Left channel data is output when
LRClk is high and right channel data is output when LRClk is low.

There are three slave and five master modes in which the digital interface of the
TLC320AD57 can operate. As a master the device accepts a master clock input and
generates LRCIk, Fsync and SCLK which are provided for the synchronising of the serial
port of a DSP or other control devices.

In slave modes the TLC320AD57 receives LRClk, Fsync and SCLK as inputs. The
conversion cycle is synchronised to the rising edge of LRClk and the data is synchronised
to the falling edge of SCLK.

The TLC320AD57 utilises a differential architecture for the internal analog signal path
which yields excellent dynamic performance as indicated in figure 2.29. This includes an
SNR of 97dB and total harmonic distortion of 91dB.

5.2.2 TLC320AD58 Sigma-Delta Analog-to-Digital Converter

The TLC320AD58 offers extra dynamic performance over and above that offered by the
TLC320AD57 as shown in the features listed in figure 2.31.
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TLC320AD58

Sigma-Delta Stereo Analog to Digital Converter

Features

Single 5-V Power Supply

Sample Rates up to 48 kHz

18-bit Resolution

Signal-to-Noise (EIAJ) of 99 dB (Typ), 95 dB (Min)
Dynamic Range of 97 dB (Typ), 93 dB (Min)

Total Signal-to-Noise+ Distortion of 95 dB (Typ)
Internal Reference Voltage (Vref)

Serial Port Interface

Differential Architecture

Operating Mode ............ 220 mW Power Dissipation (Typ), 300 mW (Max)
Power Down Mode 700 pW Power Dissipation (Typ)

Applications

Digital Audio Tape (DAT) Recorders
Digital Audio Mixers

Voice Recoghition

Noise Canceliation

The functional block diagram of the TLC320AD58 is shown in figure 2.32. Architecturally
and functionally it is very similar to the TLC320AD57. The only significant difference is
that the total gain of each channel of the TLC320AD58, though the same as that of the

Figure 2.31 - TLC320AD58 Features and Applications

TLC320AD57, has been redistributed between the input stage and the high pass filter.

This change yields a useful improvement in SNR, dynamic range and total signal to noise
+ distortion, as indicated in figure 2.31. Also the ability to bypass the high pass filter is

not available on the TLC320AD58.
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TLC320ADS58
Sigma-Delta Stereo Analog-to-Digital Converter

Functional Block Diagram

INP ————————— Sigma Delta Decimation i
High Pass >
INLM Modulat Filter | Fitter pout
fe— Fsync
- e LroK
e | SERIAL
INTERFACE
INRP ~==——————*{ Sigma Delta Decimation High Pass
M l > Filter > i
INRM Filter r_, OSFR
— OSFL
MCLK ~— 1
CMODE ~» CONTROL
MODEQ-2 —» SOk

Figure 2.32 - TLC320AD58 Functional Block Diagram

5.3 PCB Layout Precaution

Several sigma-delta AICs and analog to digital converters are fabricated using separate
chips for the analog and digital portions of the device. Apart from certain cost benefits
which can accrue from size reductions in the digital section as finer geometry IC
processes are adopted, a major improvement in signal to noise ratio can be obtained if we
make use of the fact that the substrates of the two chips are separated.
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AICs and ADCs
Printed Circuit Board Layout Precautions

’f """""""""""""""""""""""""""""""""" R
¢ ANALOG TLC320ADS55
' GROUND NU 01 28 1 AUXP :
PLANE  pwrDwWN 02 270 AUXM Return to
L OUTP 13 26P INP Power Supply
outm {4 250 INM Ground

VDD(DAC) U5 243 VDD(ADC)

*s._ REFCAPDAC [6 231 REFCAPADC
g_\{S_S(QI}-Q)Z_DtZ:: 221 VA(SUB) Ground Plane
RESET 38 -2141. VSS(ADG) - Connection

pvDD g9 20 DVes
v DIN G910 199 VD(SUB)
! DOUT aﬁ 183 ALT DATA
' 12 170 FLAGO
' SCLK 313 161 FLAG 1 Ei?ua,f:ﬁ
! DIGITAL MCLK 1 14 157 FC ~ 7| Power Supply
+ GROUND . Ground
! PLANE : -+

Figure 2.33 - AIC and ADC Printed Circuit Board Layout Precautions

This is achieved, as shown in figure 2.33 by keeping analog and digital portions of the
printed circuit board ground plane physically apart in the area of the board immediately
under the device at the boundary between the digitally related and analog related pins.

5.4 Digital-to-Analog Converters

5.4.1 TMS57014A Dual Audio Digital-to-Analog Converter

The TMS57014A uses a sigma-delta architecture to achieve a dynamic range of 96dB and
a total harmonic distortion of only 0.004%. Several useful features, such as digital
attenuation to -60dB and programmable de-emphasis filter, make it ideal for use in a
variety of audio equipment including compact disk players and digital audio tape
systems.
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TMS57014A
Dual Audio Digital-to-Analog Converter

Features
Single 5-V Power Supply Digital Attenuation to -60 dB
Sample Rates(Fs) up to 48 kHz Mute with Zero-Data-Detect Flags
18-Bit Resolution Serial Port Interface
Pulse Width Modulation (PWM) Output Differential Architecture
Programmable Deemphasis Filter 2’'s Complement Data Input

(for Sample Rates of 32, 37.8, 44.1, and 48 kHz)
Total Harmonic Distortion of 0.004 % (Max)
Dynamic Range of 96 dB (Min)

Applications

Compact Disks

Digital Audio Tape

Video Cassette Recorders
Muitimedia

Figure 2.34 - TMS57014A Stereo Audio DAC - Features and Applications

Each channel contains an interpolation filter which essential adds extra data points in
between those supplied to the device at the digital input. As shown in figure 3.35 the
digital data then passes via the de-emphasis filter to the DAC modulator which produces
a pulse width modulated signal at its differential output.
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TMS57014A - Functional Block Diagram

INIT  XIN XOUT 256FSO

ATT
SHIFT
LATCH —™

Serial
Control

MUTEL
Timing and Control —
MUTER

DATA
BCK—»
LRCK ——1

Seriat Data

" " Deemphasis DAC L1
Attenuation Interpolation o° Filter Modulator 2
Filter

Zero-Data Left Channel
Detect

Zero-Data I

Detect Right Channe!

. Deemphasis DAC R
" MM”

Figure 2.35 - TMS57014A Stereo Audio DAC - Functional Block Diagram

A suitable low pass filter such as that shown in figure 2.36 should be applied to the

output of each DAC to convert the PWM waveform into a high quality audio signal.
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Differential L2(R2) o 1
Output from 22yF 10042 ;
t = Audi
(L;ﬁ (H-ghl)Ac AGNDL(R) L—} F o‘an:u
Moi:jr;r;:‘lo? = 1200pF == 1/2 NE5532 220k(2
—> LR tonF I
T =
= AGNDL(R) =
AGNDL(R)

TMS57014A - Output Low-Pass Filter

10k 5.6kS2

AGNDL(R)

Figure 2.36 -TMS57014A Stereo Audio DAC - Output Low Pass Filter
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6 Video Interface Palettes

6.1 Introduction

Today's computer systems make extensive use of graphics, both in the user interface such
as Windows™ and in the applications software such as desktop publications, CAD, etc.

In order to service these applications, high resolution monitors are required together
with the circuits that drive them.

Introduction - Resolution and Refresh Rate
__”

1024

®  Today's demanding applications
require ever higher resolution from
the graphics monitor.

® A 1024 x 768 resolution, XGA
display has approx 2.5 x the
information of a 640 x 480 VGA
display.

&  Higher screen refresh rates are
demanded to prevent flicker.
72 Hz is the normal standard.

768 ————il

®  Blanking ratio is typically 25%
® Dot clock = (No. of pixels per line) x (No. of lines per frame) x (refresh rate) x (blanking ratio)

®  EG. Dot clock = 75MHz = 1024 x 768 x 72 x 1.33 or approx 129MHz at 1280 x 1024

Figure 2.37 - Video Interface Palettes - Resolution and Refresh Rates

6.1.1 Resolution and Refresh Rate

Over the years IBM VGA (Video Graphics Array), which has a resolution of 640 x 480,
has dominated the overall graphics board design. However, as the technology advances,
resolutions of 1024 x 768 and higher (such as 1280x1024 and 1600x1280) become the
general design target.

There is also a requirement for high refresh rates, to eliminate the annoying flicker
effect. The current standard is 72 Hz non-interlaced, but more designers are now
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considering 76 Hz, 85 Hz and even higher. This combination of high resolution and high
refresh rate demands a very fast pixel clock (dot clock).

6.2 A Video Interface Palette

A Video Interface Palette (VIP) is a complete graphics back-end on a chip. It interfaces
the Video RAM of a PC or workstation with the graphics monitor. It contains a
combination of fast logic functions and video DACs to transform the stored image into an
analog signal for input to the monitor.

VIP - Simplified Block Diagram

Video
DACs
@
Disol : Red § /Dﬁ
isplay . P . Palette N N  Display .
Memory | MUX "I RAM L:G'ee” g ~ monitor
! Blue e ~
. : LK
i;:;z:( : Clock SC Testing
| Generation functions
source - ——»VCLK
® Interface to display monitor ® Palette Memory
® Interface to image memory ® Digital to Analog conversion
® Video timing generation ® Testing

Figure 2.38 - Video Interface Palette - Simplified Block Diagram

The input multiplexer on the VIP will allow different numbers of bits-per-pixel and
different numbers of pixels-per-transfer under S/W control. This, together with a
programmable dot clock source allows the computer display to be set-up with different
screen resolutions and numbers of colors.

In the 1, 2, 4 or 8 bits-per-pixel modes the pixel data, from the Frame Buffer goes, not to
the DACs, but addresses a 256 location x 24 bit paletce RAM within the VIP. This allows
up to 256 colors to be resident at any one time with the 24 bits being composed of 8 bits
each of red, green and blue data. The 256 colors chosen are downloaded by the host
depending on the application.

The VIP also supports 16-bit and 24-bit true color modes, where the data from the Frame
Buffer goes directly to the video DACs. This is usually used to present "real" images to
the screen, the 24-bit mode providing "photo-realistic" images.
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Because the VRAM serial port speed is limited to approximately 50 MHz, then for dot
clock speeds above 50 MHz, more than 1 set of pixel data has to be transferred in each
read cycle.

As more colors are demanded at higher and higher resolution then wider pixel buses are
required to effect the transfer to effectively increase the bandwidth of the pixel bus.

With the advent of Windows™ 3.1 which supports 24-bit true color applications, there is
an increasing demand for graphics systems which support 24-bit true color at 1024x768
resolution. As the dot-clock is approximately 80MHz at 1024x768 resolution, then 2
pixels need to be read into the VIP in each transfer. For 24-bit true color the pixel bus
width would have to be 48-bits wide. In fact a 64-bit wide pixel bus is traditionally used,
allowing an 8-bit overlay function.

Resolution, Colors and Frame Store Size

MIN.NUMBER | ppamg | APPROX | sCREEN FRAME STORE SIZE FOR NUMBER OF COLORS
OF PIXELS RATE DOT | ReSOLUTION (MBytes)
PER TRANSFER * CLOCK ‘
60Hz | 38MHz 800
1 <] 025 05 05 1 1 2 2
72Hz 46MHz ©
60Hz | 63MHz 1024
2 o Q.25 05 1 2 2 3 4
72Hz | 76MHz © - -
60Hz | 105MHz 1280
4 & 0.5 1 2 3 3 4 6
72Hz | 126MHz 2 b - b -~
60Hz | 164MHz 1600
4 2 05 1 2 4 4 6 8
72Hz | 197MHz = - - - -
NUMBER OF COLORS 4 16 | 256 | 32k | 64k | 1em |16M+ 256
OVERLAY
NUMBER OF BITS PER PIXEL 2 4 8 |1508) | 16 24 32

* AT APPROX 45MHz VRAM SERIAL PORT SPEED
* NEEDS PALETTE WITH 64-BIT PIXEL PORT OR EXTERNAL MUX
* NEEDS PALETTE WITH MORE THAN 64-BIT PIXEL PORT AT PRESENT VRAM SPEED OR EXTERNAL MUX

Figure 2.39 - Resolution, Colors and Frame Store Size

6.3 Video Interface Palettes Product Range

TI produces a substantial range of Video Interface Palettes with new devices constantly
under development to keep pace with the rapidly developing PC market. Figure 2.40
shows some of the main features of these products.
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Video Interface Paletfte Products

Device Pixel Bus  Pixel Clock Features

Width (bits) Max, (MHz)
TLC34058 32 135 Industry standard, second source to BT458
TLC34074 32 200 Big & Little Endian format,8-bit DAC
TLC34075A 32 135 24-bit true color
TLC34076 32 170 "Enhanced" '34075, 16 & 24-bit true color
TLC34077 32 135 TLC34076 for ATI6E8800 controller
TVP3010 32 170 TLC340xx comp., H/W cursor, VRAM interface, direct & true color
TVP3020 64 200 H/W cursor, VRAM interface, direct & true color
TVP3025 64 220 TVP3020 + clock PLLs, BT485 register emulation for S3-Vision964
TVP3026 64 220 Cost optimised TVP3026, BT485 driver comp., packed pixel support
TVP3030 128 220 TVP3026 + dual PLLs, additional packed-pixel modes, 128-bit
TVP3408 16 170 Low cost for DRAM based syslems, PLL synthesisers, comp. to ATT20C409

TVP3703 16 170 Low cost for DRAM based systems, PLL synthesisers, comp. to STG1703

Figure 2.40 - Video Interface Palettes Product Range
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1. TLE2425/6 - Virtual Ground
Generators

1.1 Single Supply Operation

There are applications where operation from a single 5V supply is mandatory. If this is
the case, careful consideration needs to be paid to the voltage at which the inputs of the
op amp are biased.

Normal dual supply op amps in an inverting configuration will have their inputs biased
around OV, allowing the output to swing symmetrically around 0V.

Single Supply Operation
For Maximum Output the Input has to be biased about Mid-Rail

R, ViVa VoV _v.Re
RV TR = Ve
Cs R, lgnoring any AC
i dance of C
V] | > o, T i
TV ~
v L For V> Vg, Vo= 0V for V< Vg, Vo=V,
L]
€L If Vo= Voo/2, V= VoD V,
= R
Y’=\O Vo= Veer ~
V / \ o NS L
" " ¥ B Veen - S T A I N Veern
K / Nan N LN o N
NN I SN
oV ov

Figure 3.1 - Single Supply Operation

However, if an op amp operating from a single 5V supply has its inputs biased around
0V, then positive input voltages will drive its output into saturation just above 0V.
Negative input voltages will drive the output into its normal positive output swing.
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Therefore, operating from a single supply voltage, inputs must be biased at around half
the supply voltage. Figure 3.1 shows the effects of biasing the inputs at OV and at half
the supply voltage. When biasing the single supply opamp with its input at half the
supply voltage the loading of the feedback resistors must be taken into account. The
feedback resistor will be treated as a load by the op amp; if the loading is too great
crossover distortion could be introduced.

1.2 TLE2425/6 - Virtual Ground Generators

Single supply applications require an accurate reference, which will need to be able to
supply varying amounts of current.

The TLE2425 contains an accurate low power 2.5V reference that is buffered by a low-
power op amp capable of high output current. This makes it ideal for 5V supply
applications where either a low power reference or a low impedance artificial ground is
required. The TLE2425 requires only 170uA of quiescent current, but is capable of
sourcing more than 20 mA of output current. Further, the TLE2425 has been designed to
drive capacitors of up to several hundred microFarads.

The TLE2426 is very similar to the TLE2425 except that it contains a high impedance
potential divider. This provides an 'Analogue Ground' equal to half the voltage applied
across its IN and COMMON terminals.

TLE2425/6 - Virtual Ground Generators

"A New Concept In References And Grounds” .
5V
* Optimised For Single Supplies 410 40 volts 10k

| TLE2425 (%—C: -
V., TLC2201
+

2.5 V Precision R
4 Virtuat ground

* IMPROVED PERFORMANCE =

input Reguiation L 15 pviv 100 kQ2
Load Regulation R RN L
O/P impedance (DC) .. 0.0075Q 5V
O/P Impedance (10 kHz) ... 0.02 Q 410 40 volts 10kQ

Power Consumption ...B50 uW

Low Quiescent Current ... 170 pA

| TLE2426 W -
v, T.C2201

+
Veo/2 Precision il
Virtual ground h

« REDUCTION IN BOARD SPACE
- 3 pin 'LP or 8 pin SO Package

Figure 3.2 - TLE2425 & TLE2426 Features

Figure 3.2 shows the features of the two virtual gound generators, TLE2425 & TLE2426.
We can readily see that these simple integrated circuit elements offer a novel function for

signal conditioning circuits.
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1.3 Unbalanced Power Supply Correction

All op amps are five terminal devices: the positive and the negative (ground) supply pins,
the two inputs and the output. The op amp itself has no ground pin and therefore has no
direct relation to the system ground, but only to half of the total supply voltage. Most op
amps have been designed for their inputs to work in the middle of the supply voltage
range, hence their datasheet parameters are tested and specified only at this mid-supply
point. If op amps are operated with unbalanced supplies, the performance actually
achieved in the application may be different from that specified in the data sheet. Typical
errors seen will be increased common-mode errors, loss of symmetry in output swing or
even clipping.

The TLE2426, by halving the total power supply, can be used as a half-supply analogue
ground. Referring both the inputs and loads to this ground reduces the common-mode
errors as well as the loss of symmetry in output swing.

Unbalanced Power Supply Correction
TLE2426 Reduces Supply Related Errors

® The TLE2426 acts as an analogue
ground sinking/sourcing upto 20 mA.

+

® Referring input and output to
analogue ground increases output
swing capability.

Rg= 2kQ
Re= 20 kQ
R = 10kQ
V) = 750 mV

WITH TLE2426 WITHOUT TLE2426

Figure 3.3 - Unbalanced Power Supply Correction

An unbalanced supply will have one supply greater than the other (+5V, -12V), as shown
in figure 3.3.

An op amp, whose input is referred to ground, will have a much greater negative output
swing than a positive one (i.e. the waveform is clipped). The use of TLE2426 in providing
a true low impedance ground allows both the inputs and outputs of the op amp to be
referred to the new ground and provide a symmetrical undistorted wave form. The
TLE2082 is specified to drive a minimum of 30mA without problems in this application.
The TLE2426 may be similarly used for other unbalanced supplies.
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1.4 TLE2425 Current Source

The TLE2425 is ideal for maximising the performance of single rail 5V applications. Its
accuracy and high output current make it well suited to function as a high performance
current source. The minimum drop-out voltage of this device is 1.5V. The maximum
output voltage of the TLE2425 is 13.5V. This means that the maximum voltage on the
common terminal will be 11V. The feedback loop around the opamp means that the
voltage at the inputs of the opamp will also be at 11V.

TLE2425 Current Source

More Than 3 Decade Current Source 10 =Vnee_ - 2500

« OUTPUT CURRENT PROGRAMMED P
OVER 100 TO 1 RANGE -

Oulput

LI_]*

* UNTRIMMED PRECISION: TLE2425 [
0.75 % ACCURACY :
70 PPM/ T TEMP COEFF.
(R= METAL FILM, 0.25%) —

Vemir= 13.5V

* HIGH OUTPUT VOLTAGE SWING
11 VTO oV

TLE2425 : Enables precision and wide output current range

TLC271 : CMiRinciudes GND low power consumption

Figure 3.4 - TLE2425 Current Source

The common mode input voltage range (Vemir) of the TLC271 extends from ground up to
1.5V from the positive supply. The positive supply is 15V therefore the specification of
the TLC271 will be met for this parameter. To minimise the quiescent current of the
whole current source, the TLC271 has its bias select pin (8) tied to the positive supply
voltage.

The accuracy of the system is limited by the accuracy of the resistor, and by the input
offset voltage of the TLC271 which will be also affected by its common mode rejection
ratio.
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2. Low Drop-Out (LDO) Regulators

2.1 Single supply powered applications

Many applications today are battery powered. The output voltage of the battery varies
with the amount of current being removed from the cell. This effect based on the internal
series resistance of the battery which changes with its remaining charge. In order to
provide a 5V supply, 5 NiCd batteries have to be used. At initial full charge, the total
battery voltage would be up to 7.5V. However, the nominal voltage for NiCd batteries in
use is 1.2V which would equate to 6V. This is too high for 5V digital/linear electronics
where the maximum supply is specified at 5.25V. Therefore, a fixed 5V output regulator
must be used.

Major concerns of designers are: battery life and component dimensions.

Battery Powered Applications
Considerations for Maximising Battery Life

Drop-Out\
/\:oltage

amarana T T
S Regulator i olerance
* Quiescent Current:

i V()UT
'r\
Amp-Hrs in Standby - |

Biasing in Drop-Out - B R

¢ Output Tolerance: @ 0.2 V Drop-out voltage
Minimum Input Voltage 60V ?-W”'CADS)
525V f--------- ¢

L
485V - mmos ¢

* Drop-Out Volitage:
Minimum Input Voltage
Power Dissipation

Voltage

Figure 3.5 - Battery Powered Applications
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2.2 Low drop-out voltage

Reducing the drop-out point of the linear voltage regulator extends the life of the battery
by allowing the regulator to function longer from a lower input voltage. When the
regulator enters its drop-out condition, the regulator’s quiescent current will increase due
to the reduced current gain of the pass transistor. Low drop-out regulators using PNP
transistors have the base drive circuitry below the output voltage, thus allowing a much
lower drop-out voltage.

2.3 Low power stand-by mode

To further extend the battery life of a portable system the device should have a TTL or
CMOS compatible enable pin to switch the device into a standby operating mode. This
facility can be used to automatically power down the system when it is not in use so that
battery power is conserved.

2.4 Lower supply voltage

Using an output voltage of 4.85V instead of 5V for a regulator can add to the battery life
of a system. This is due to the TTL tolerance being between 4.75 - 5.25V. If the supply is
operated at 4.85V, the battery voltage can fall to a lower level while the regulator
maintains a regulated output to the system.

2.5 TL75LPxx family (LDO)

The dropout voltage from the TL75LPxx family is lower than that from standard series
regulators with NPN pass transistors. This permits regulation at lower battery voltages
and thus increases the useful battery life. The key features of the TL75LPxx family are
low dropout voltage and low power requirement in standby mode. Another feature is that
all devices are available in 20-pin TSSOP package which allows high density layouts to
be achieved on the PCB.
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TL75LPXX Family of Voltage Regulators
Low Drop-Out Voltage Regulator With An Enable Pin

® Only 400 mV (max) Drop-Out at

Device O/P Volta
300 mA of output current TL75LP4BQPWIE | 485V
L , [ TL75LPOSQPWLE | 500V
¢ Available in 20-pin TSSOP Package. TL75LPOSQPWLE 800V
( 4.70 mm X 6.80 mm X 1.10 mm) TL75LP10QPWLE 100V
TL75LP12QPWLE 120V

* Standby Mode Available

Voar |\
TL75LP48 Vour 600

—

Drop-Out
Voltage

Time

Figure 3.6 - TL75LPxx Low Dropout Regulators

The drop-out voltage for the TL75LPxx family is typically 220 mV @ 300mA of output
source current. The product family also has an enable/disable pin which places the output
part of the voltage regulator into a high impedance state. In this condition, the voltage
regulator will only consume a typical current of 100 uA. The standby mode is TTL and
CMOS compatible.

The TL75LP48 is specified at 4.85 V, and the 2% (max.) tolerance of the voltage regulator
gives a minimum output voltage of 4.75 V which is the minimum supply voltage for TTL.

The input and output capacitance loading is important to the performance of this
regulator type. The capacitance values and equivalent series resistance (ESR) affect the
control loop of the device and therefore must be defined for the load and temperature
range.

The TL75LPxx family only requires a minimum output load capacitance of 10 pF. This
capacitor saves board space and costs less than the 100 uF capacitor formerly needed.

2.6 TLV2217-33 (LDO)

The 3.3 V supply voltage is currently preferred to 3 volts since this has full JEDEC
standard approval. The TLV2217-33 is a low drop-out 3.3 V fixed output voltage
regulator and meets the JEDEC standard. The device has a max. drop-out voltage of
500 mV while sourcing 500 mA of output current. Since the drop-out voltage is low, the
minimum input voltage can be 3.8 V which makes it also suitable for running off existing
5V supplies.
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Moving From 5V To 3V In The Linear
World

In the Digital World there are a number of good reasons for

moving from 5 V to 3 V supplies:
- Increased Memory Capacity 5 V

- Reduced Power Consumption

In the Analogue World, 3 V is less attractive for most
applications:

- Reduced Accuracy

- Reduced Signal-to-Noise Ratio

- More Complex Design and Board Layout

- IC Design a Great Deal More Difficult

Future Digital Designs could eventually ail be 3 V Analogue

Designs will go to 3 V, only if:
- Power Consumption is a Key 3 V
- Forced to Work in a Digital System

- Once the problems of working at 3 V have been
solved

Figure 3.7 - 5 Volt to 3 Volt Transition

The output voltage tolerance is 1% at Tj = 25°C which guarantees an accurate output
voltage. The TLV2217-33 requires input and output decoupling capacitors to make the
voltage regulator stable. The minimum input capacitor value is 0.1 uF while the typical
output value is 22 uF. The device is available in the TSSOP package for high density
applications.
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TLV2217-33 Voltage Regulator
3.3 V Low Drop-Out Fixed Output Voltage Regulator

500 mV
* Meets the New 3.3 V JEDEC v / ) \\— SomAT .
Standard. '"T—Tfﬁ % T""‘ 2%
* Available in the New TSSOP anv e Tyt
(surface mount package) to 12V } O-1uE ’ 2uF
¢ 500-mV dropout at 500 mA
I 50
Application Areas 45
4.0
* 3.3V from existing 5 V supplies. § 35
= 30 [
¢ Medium power 3.3 V hand-held ,>? 25 Vour
systems. a 290
£ 18 Vin
* 3.3V High density applications o 7/ SRR N N
0.0

00 10 20 30 40 50
Output Voltage

Figure 3.8 - The TLV2217-33 Voltage Regulator

The TLV2217-33 has a typical bias current of 2 mA with no load output current. In mains
powered applications this parameter is not too critical. In battery powered applications
however, the bias current under no load is regarded as a significant power loss and needs
to be as low as possible. The device does not have an enable pin to place the device into a
standby mode like the TL75LPXX. Another solution to reduce the power loss would be to
insert an electronic switch (FET) between the power source and the input of the
regulator. This will reduce the standby bias current of the TLV2217-33 to negligible
levels.

To increase the output current capability (current boost) of the TLV2217-33, a shunt
transistor can be used as shown in figure 3.8. The value of R is selected so that Q1 is off
when the LDO is operating well within its maximum current output and power
dissipation capability. Above the current capability of the LDO the current through R is
sufficient to generate approx. 0.7 V (VBE), and therefore the transistor Q1 starts to
conduct, increasing the current capability to the load. The bias current of the transistor
must go through the TLV2217-33. This needs to be considered when calculating R. It
must also taken in account that adding of R at the input of the LDO regulator will
increase the drop-out value from 0.5 Vmax. to about 1.2 V. This design idea has the
benefit of keeping the output voltage of 3.3 V +2% max. while offering higher levels of
output current.
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Current Boost

Q
T\
n 1
. |__R_} TLV2217-33
Vi —— e —— Vv

out

Figure 3.9 - TLV2217-33 Current Boost

2.7 TPS7101/33/48/50 (very low dropout)

The 3.3 V supply is dictated by the needs of the digital system. There are a number of
reasons why moving to 3 V is attractive for the digital system. High component densities
and speeds dictate smaller transistor geometries which can only sustain lower
breadkdown voltages. Thus, the trend is to ever lower voltage components to realise
these digital benefits.

2.7.1 Product Descripton

TheTPS71xx family of low drop-out (LDO) regulators offers an order of magnitude
improvement in drop-out voltage over traditional bipolar designs. These devices feature a
maximum dropout voltage as low as 32 mV at 100 mA of output current while
maintaining a maximum quiescent current of 350 pA, regardless of load, even in drop-
out. This exceptional performance is achieved by using a PMOS pass transistor instead of
a bipolar PNP transistor. Using these LDOs directly adds operating life to equipment
powered by fixed voltage battery supplies. An enable function allows for powering down
the regulator and reduces sleep-state current to < 1 pA. There is also a power-good (PG)
output that can be used as a power-on reset or as a low battery indicator.
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Functional Block Diagram Of
TPS71xx-family

LENM—% 1 —li PG

N ‘ 7'7”*,
é 1 ,&—L— ouT
1'12\”*\5‘_”5 SENSE/FB
[Vref= 1.178 V] i m%
l

§ NTERNAL RESISTOR DIVIDER
Device | R1 R2 Unit
R2 TPS7101 0 © Q
TPS7133 | 420 233 kQ
TPS7148 | 726 233 kQ
GND TPS7150 | 756 233 k Q

Figure 3.10 - TPS71xx Family Block Diagram

2.7.2 Key features / benefits

Using the Texas Instruments LinBiCMOS™ process technology the following device
features are achieved:

®* © © & & o o

Industry's best available drop-out voltage on chip

Extremly low and constant current, independent of load, even in drop-out
2% output regulation over full range of load, voltage and temperature
Output current range of 0 mA to 500 mA

Logic shutdown, sleep-state current <1 uA

Small 10 pF compensation capacitor at the output

TSSOP packaging for space-critical designs
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Typical Application Circuit

VI
TPS71xxPW-20 é
Vi 81N PG JZ—»—'VT%— PG
+—3N SENSE |1®
0N ouT P4 b o A
“—Gg EN ouT 13 S
01C:1F == B P
. pm—— | - (e} |
50V | L‘ 10pF |
i
[
|
GND { ESR |
KRERE BRE b

Figure 3.11 - TPS71xx Typical Application

2.7.3 Application information
The TPS71xx series contains three fixed and one adjustable version:

TPS7101  adjustable from1.2 Vto 9.75V
TPS7133 33V

TPS7148 485V

TPS7150 5.0V

The main applications for this device family are notebook PCs, cellular phones, portable
instruments and diagnostic and monitoring equipment.
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TPS71xx TYPICAL REGIONS OF STABILITY

TOTAL ESR
Vs
ADDED CERAMIC CAPACITANCE

a VIV s s
. No Input Capacitance
g C,= 10KF
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Ceramic Capacitance - uF

Figure 3.12 - TPS71xx Typical Regions of Stability

2.7.3.1 SENSE pin

The SENSE pin of fixed-output LDO must be connected to the regulator output for
proper operation of the regulator. The connection should be as short as possible.
Internally, the SENSE pin connects to a high impedance wide-band amplifier through a
resistor divider network. Routing the SENSE connection to minimize noise pickup is
essential. An R-C network between SENSE and OUTPUT is not recommended as this
may cause oscillation.

2.7.3.2 External capacitors

Normally, an input capacitor is not required. To improve load transient response and
noise rejection a ceramic capacitor (0.1 pF) could be useful as a large load and fast rise
time are anticipated.

As with most LDO regulators, the TPS71xx requires an output capacitor for stability. A
low-ESR 10 pF solid-tantalum capacitor, connected from the regulator output to ground,
is sufficient to ensure stability over the temperature range. Adding high frequency
ceramic or film capacitors (such as power supply bypass capacitors for digital and linear
ICs) can cause the regulator to become unstable unless the ESR (Equivalent Series
Resistance) of the tantalum capacitor is less than 1.2 Ohm over temperature. Capacitors
with published ESR specifications are available on the market for instance from Sprague,
Kemet, AVX. Figure 3.12 shows typical regions of stability for the TPS71xx series.
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TPS7101 Adjustable LDO Regulator

Programming
OUTPUT VOLTAGE
\"A PROGRAMMING GUIDE
250ka OUTPUT

TESTIC! PowerGood | VoLTage | M1 | F2 junit
0.1 uF & IN PG Indicator 25V 191 | 169 | kQ
5T 33V 309|169 | ka
>27v _our Vo 36V 348 | 169 | k@
—]EN R1_l+ 4V 402 169 kQ
<04V FB j|: 5V 549 | 169 | kQ
GND R2 6.4V 750 | 169 | k@

- Xg_).
m_(vw 1)-R2

Figure 3.13 - Programming the TPS7101 Adjustable LDO
2.7.3.3 TPS7101 Adjustable LDO

Programming the adjustable regulator is accomplished using an external resistor divider
as shown in figure 3.13. The equation below defines the output voltage:

Vo= Vref(] + ﬂ)
R2

where Vo= 1.178 V typ. (reference voltage).

Resistors R1 and R2 should be chosen for approximately 7 pA divider current.
Recommended values for the resistors R1 and R2 are shown in figure 3.13.
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TPS7101
Typical Dropout Voltage vs. load current
0.50 | | i
T,= 26°C
0.45 *c = 47uF ESR= 1Q
L C=0
0.40 T Ve V1V
> 035 L
S 0.30
£ TPS7101 (V,,, programmed to 2.5 V)
L o025
5 /
g 020 TPS7133
2
O 0.15 .
TPS7148 | ———
0.10 - __——— TPS7150
0.05
0.00 005 0.0 015 020 025 030 035 040 045 050

I, - Load Current - A

Figure 3.14 - TPS7101 Dropout Voltage vs. Load Current
2.7.3.4 Power good indicator

The status of the regulator output voltage can be monitored at the power-good (PG)
output pin. The internal comparator comprehends the output voltage. When the output
drops to between 92% and 98% of its nominal regulator value, the PG output transistor
turns on, taking the signal low. The open-drain requires a pullup resistor (ca. 250 kOhm).
If not used it can be left floating. Also PG can be used to drive power-on reset circuitry or
as a low-battery indicator.
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TPS71xx
Typical Standby Current

1000 T T T I f = = e
i i — i
—1 i | { |
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Figure 3.15 - TPS71xx Standby Currents
2.7.3.5 Regulator protection

The TPS71xx PMOS pass transistor has a built-in back diode that safely conducts reverse
currents when the input voltage drops below the output voltage (e.g. during power-
down). If extended reverse voltage is anticipated, external limiting may be appropriate.

These devices also feature internal current limiting and thermal protection if the

temperature exceeds 165°C. During normal operation, the TPS71xx limits output current
to approx. 1 A.

When current limiting engages, the output voltage scales back linearly until the

overcurrent condition ends. Care should be taken not to exceed the power dissipation
ratings of the package.
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Noise (V/VHz)

TPS7150
Output Spectral Noise Density
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N L
1E-07 « N /E 7: 100 F ESR= 1Q
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1
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TR _ I DY
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Frequency (Hz)

Figure 3.16 - TPS7150 Output Noise Spectrum
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Quiescent Current (typical)
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Figure 3.17 - TPS71xx Quiescent Current

2.8 TPS72xx series (very low dropout)

The TPS72xx family of LDO voltage regulators offers the benefits of low drop-out voltage,
micro-power operation and miniaturized packaging. Packaged in 8-pin TSSOP and SOIC,
the TPS72xx series of very low drop-out regulators are ideal for cost sensitive designs
(compared to the TPS71xx family) and where board space is at a premium.

2.8.1 Product description

The PMOS pass element behaves as a low value resistor, the drop-out voltage is very low
(90 mV) at 100 mA for the TPS7250) and is directly proportional to the load current.
Therefore, the PMOS pass element is a voltage driven structure. The quiescent current is
also very low (200 pA typically) and stable over the entire range of output load current.
The quiescent current does not increase when the regulator goes into drop-out unlike
PNP structured LDO regulators. This results in a significant increase in system battery

operating life.
2.8.2 Application information

All the applications mentioned earlier for the TPS71xx family can be satisfied with the
TPS72xx series if the recommended output current limit of 250 mA is taken into account.

The TPS72xx series also offer an extremely low sleep state current of 1 uA, and an error
flag when the output voltage falls 5% below the nominal value. These features make
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power supply design much easier and reduce development cost. Figure 3.18 shows a
typical application schematic.

Typical Application Schematic
of TPS72xx - family

TPS72xx
v, 5 PG |2 LOW BAT:’I’ 1ND/ N
6 + /-
IN ouT Vol )

ouT

e 4|
0.1 pF l‘_‘—d EN SENSE _L‘ C,
4.7 uF
GND ESR= 0.5Q
| R

8
7
1

Figure 3.18 - TPS72xx Typical Application
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3. Switching regulators (PWM)

3.1 Introduction

In a switching regulator a transistor acts as the control element. The control is provided
by chopping the input voltage to control the energy (4LI%) which is stored in the inductor,
see figure 3.19.

Switching Regulators

I COMMON l COMMON

Parameter Linear Regulator 1 Switching Regulator

Typically 70% - 90%
Can be large

High (30 Watts)
High (100 m

Efficiency Typically 30%
Vi - Vou Small (minimise loss)
Low (2 Walts)
Low (20 mV/

Figure 3.19 - Switching Voltage Regulators

The advantage of this technique is that the pass transistor is either fully switched off or
on. In both cases the power dissipated in the switch is minimised. Therefore the PWM
regulator operates at a higher efficiency than a series regulator. Typically, a switching
regulator operates at 70% to 90% efficiency, compared to the 30% efficiency of a series
regulator.

The disadvantage of a PWM regulator is that it is more complex and requires more
complicated support circuitry. An inductor is used as the passive component to store
charge instead of a capacitor, and inductor design is complex. The switching process also

3.25




1995 Linear Design Seminar

introduces high frequency electrical noise on the input and output voltages, and filters
are often needed. Finally, PWM regulators tend to produce more ripple at the output.

3.2 Switching PWM topology

There are four main types of configuration which generate a PWM output voltage.

Switching Regulator Topology

Buck (Step-Down) Boost (Step-Up)
0—/*%—’%‘—?[0 O—'UUUL—I~H—I-O
R S S S
Buck-Boost (Inverter) Flyback

EERENN LIS

Figure 3.20 - Switching Regulator Topology

The Buck (Step-down) converter interrupts the current through the inductor to the load
and therefore interrupts the voltage to the load. This means that the inductor voltage is
either Vin or 0 V. A simple equation can be used:

Vout = Vin —T&—
Toff + Ton

The Boost (Step-up) converter operates by storing energy in the inductor when the switch
is closed, and transferring this stored energy to the load capacitor when the switch is
open. This configuration allows the output voltage to be set to a greater voltage than the
input voltage. Also for calculation purposes a simple equation can be used:

Vout = Vin| 1 + L2
Toff

The Buck-Boost converter (Inverter) operates in almost the same way as the boost
converter. Energy is stored in the inductor when the switch is closed. However, when the
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switch is turned off, the energy is transferred through the diode to the load capacitor
with a negative amplitude.

The Flyback converter uses the same principle as the boost converter. However, the
inductor is now the primary winding of a transformer and the secondary winding is used
as the output. Now the output voltage can be set by the winding relationship (1:N)
between primary and secondary of the transformer.

3.3 Voltage mode PWM control

The control technique of the PWM regulator is provided by a feedback loop from an
external potential divider network which is compared to an accurate internal voltage
reference. The difference between the actual and the desired output voltage is then
generated by a differential amplifier which produces an error signal (Verr). This error
signal is compared to the oscillator voltage (Vosc) which resulted in a switched output
voltage (Vpwm).

Voltage Mode PWM Control

P o

* O/P

Figure 3.21 - Voltage Mode PWM Control

The frequency of the oscillator is normally controlled by an external timing capacitor.
Whenever the magnitude of the voltage ramp exceeds that of the error signal, the
comparator signal is high, activating the power switch. Similarly, when the ramp is
below the error signal, the output is low and the switch is turned off. The width of the
pulses (and hence the duty cycle) is modulated by the error signal. Owing to the
increased need for switching regulators in portable and high density applications, Texas
Instruments has developed a range of Voltage Mode PWMs.
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3.4 TL5001 (PWM controller)

The TL5001 is a pulse-width modulation control integrated circuit. The high switching
frequency (up to 400 kHz) achieves high efficiency with smaller, lower cost external
components. Frequency and dead-time control use just one external resistor each. A low
supply current of only 1.4 mA makes the device well-suited for DC-to-DC converters in
battery-powered equipment.

Other features include:

Wide input voltage range (3.6 Vto 40 V) - supports 3 V design
Short-circuit and undervoltage protection - improves system reliability
— directly drives PMOS transistors

— supports range of circuits

.

¢

¢ Output current 20 mA

¢ High output voltage up to 50 V
¢

8-pin surface-mount and DIP packaging - saves board space

This control circuit is primarily developed for Notebook PCs including LCD backlight
supplies.

Functional Block Diagram of TL5001

Veo RT oTC
2 v po OU:
L—— UVLO ] T
. IT‘H>
LV peterance |25V 7‘6}*’
15Vl Votage |1V | PWM/DTC
Comparator
/Exz::)rmier sce - [OSC M
omparator 1 ———| :D
3 —
4
FB -2 ; scp L8
COMP + L Comparator 2 GND
scp-2 ’ [>Qm

SCP = Short-circuit protection

!

UVLO = Undervoltage lockout protection

Figure 3.22 - TL5001 Block Diagram

3.4.1 Product description

The TL5001 incorporates all of the functions required to design a control circuit. The
device can easily be used in step-up, step-down and flyback configurations to generate
positive voltages.
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Under-voltage lockout checks the outputs during the low Vg conditions. Dead-time
control is ajustable from 0% to 100% by connecting one external resistor between the
DTC and GND pins.

A full description of use of the TL5001 in a 5-V to 3.3-V step-down converter, operating
up to 0.75 A can be found in the application reort Library Reference SLVA034.

5V to 3.3 V/0.75 A Converter
with TL5001CD

V,
5'\/ NOTES: A. Frequency = 200 kHz
ct L 470?1‘ B. Duty cycle = 100% MAX
‘00‘*(;5 o1 C. Soft start timing = 6ms
GND~———I B TPS'z‘:’D D. SCP timing = 76 ms
- 20 pH
o Gl sy
__9 }____.__— MBRSMOT3
Vcc ) 100 pF
—fg——scP Vo 10v
1.0 WF
Ul COMP L 3_70 oF l
cs TL5001CD e ,‘r TEoka o
T—_—) }_0"_"F___. DTC 1%
R2 3 B (393 O 0047 W
43k _
RT T e
324KQ
1%

Application Note Reference: SLVA034 =

Figure 3.23 - 5-V to 3.3-V Step-down Converter
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Test Results of DC/DC - Converter
with TL5001

PARAMETER TEST CONDITIONS MEASUREMENT
Load regulation Vi= 5V, 10=0-750mA 1.4%
Output ripple (peak-to-peak) 10 = 750 mA <20 mV

- V,= 5V, 10 = 750 mA, Q1= SI9405 74.4%
Efficiency N
V=5V, 10=750mA, Q1= TPS1101 84.1%

“The higher efficiency achieved with the TPS1101 is due to lower gate capacitance, which speeds
up switching and reduces switching loss.

Figure 3.24 - Test results of TL5001 DC-to-DC Converter
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Controller-Layout Considerations

V,
b Optional
filter
*
Controlier
VCC
Cop out
oapnF| []Fe OV
GND

High-Impedance Traces
{high-noise pickup)

-L Low-impedance Traces

N TA -] (low-noise pickup)
/
» v

.
) Keep these loop areas as small
as possible and lead length as
short as possible

Figure 3.25 - TL5001 Controller Layout Considerations

3.5 TL1451AC dual PWM controller

Many of the systems require regulation of multiple supply rails with a minimum power
loss in the regulator. The TL1451AC is especially suited for applications like office
equipment, motor controllers, audio amplifiers, VCRs, microprocessor systems, etc.

3.5.1 Product description

The TL1451AC has on a single monolithic chip all the functions required to construct two
independent PWM control circuits.

The TL1451AC is characterized over an operating temperature range from -20 to 85°C
and contains: an adjustable oscillator, temperature-stabilized voltage reference, under-
voltage lockout circuit, short-circuit protection comparator, dual error amplifiers, dual
dead-time control circuits, dual PWM comparators and dual open-collector output
transistors, each with 20 mA output sink capability.

Figure 3.26 shows the functional block diagram for the 16-pin package device.
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TL1451AC Functional Block Diagram

Vee R, C,

2 DEADTIME (1) © @ |
CONTROL N

AM
W

(10}

14
INe =1 2 OUTPUT
ERROR
wamen, (o> e e Y
(12) OSCILLATOR P
2 FEEDBACK COMP
5) 12V,
1reeoBack SL— 4 |
REFERENCE (1)
VOLTAGE l’ . REF

(15) 12kQ

scP
1 Zg‘k o] n uvLo
R
s -

f I

N+ 3 I\l‘
ernon > =t e
AMPUIFIER 1 in. (4] . -4 outpur
PWM 2
compP
1 DEAD-TIME (6) N
CONTROL ® anp

Figure 3.26 - TL1451 Block Diagram

Synchronizing the oscillator: Synchronising two or more oscillators in a common
system is easily accomplished with the architecture of the TL1451AC. Since the internal
oscillator is used for no other purpose than providing a symmetrically uniform triangular
waveform on the timing capacitor, the internal oscillator can be disabled and a
compatible triangular waveform can be provided at the timing capacitor terminal.

The internal oscillator can be inhibited by connecting the RT pin to the reference supply
output pin.

Master-Slave synchronization: To create master-slave synchronization for two or
more TL1451AC devices, establish one device as the master and program its oscillator in
the normal manner. Disable the oscillators of each slave circuit and connect the master
and slave timing capacitor pins together.

Reference regulator: The internal 2.5 V reference regulator is designed primarily to
provide the internal circuitry with a stable supply voltage. It will also supply up to 10 mA
supply current to an additional external load. The external load should not be excessive
to avoid degrading the device performance. Reference voltage levels for the error
amplifier and dead-time control inputs should be derived from the reference output.

Error-amplifier bias configuration: The TL1451AC is designed to employ both
amplifiers in a non-inverting configuration.
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TL1451AC Dual PWM Controller

* Dual Independent PWM controllers.

¢ Oscillator Frequency up to 500 kHz. Vee = 3.6V-50V

* Deadtime Control from 0% - 100%. I T T v
out2
* Undervoltage Lockout of 3.6 V. I TOPOLOG& 2 | rorotoey
/1, Deadtime -~ Deadtime

Fsedlback i ' control wn control
) U <
—
-
’__

Application Areas T
DC - DC Converters. : ]II :

Vo l = Shont circuit
o A, protection
(Step-up Step-down, Inverter) } ]C 1

Switching Frequency - .

Figure 3.27 - TL1451 Configuration

Latched Short-Circuit Protection (SCP) with timer: The SCP circuit includes timer,
latch and short circuit protection. The outputs of both error amplifiers are connected to
the SCP comparator inputs as well as to the feedback pins 5 and 12. The error amplifier
outputs are compared with the internally generated reference of approximately 1.25V
(Vref/ 2). Under normal operating conditions the error amplifier outputs are well above
the 1.25 V protection comparator reference. If one or both of the error amplifier outputs
goes low (below 1.25 V), indicating a short-circuit or heavy loading, the output of the
protection comparator goes low. This turns off a transistor, allowing the external
capacitor at the SCP-pin to charge-up toward Vyef. When the capacitor is charged to 0.6
V, the protection latch is set and the undervoltage lockout (UVLO) circuit is enabled. The
UVLO output turns off the output drivers and sets the dead time to 100%. Figure 3.27
highlights important functional circuit blocks.

Soft start: Soft start reduces stress on the output switching transistors. This is caused
by the start-up surge which occurs as the output filter capacitor charges. Soft start limits
the energy available at the instant of turn-on and gradually allows it to increase. The
available dead-time control facilitates soft start. Two external capacitors (one for each
controller) perform the soft start function. They are connected between Vyef (pin 16) and
the respective dead-time inputs (pins 6 and 11). For the capacitor value calculation
please see the application report (SLVAEO02).
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TL1451AC Application

Vo PR — —
+12V) vmﬂ F? F

-J-CS Vuun

= cam= (+ 5V @1A)

1 —

V,

out2

(-5V@06A)

Figure 3.28 - TL1451AC Application
Further applications for dual flyback converters are in the application report:

One example converts 5V Vee to 12 V output (at 0.7 A) with 80% minimum efficiency
and to -5 V output (at 0.4 A) with 75 % minimum efficiency.

Another example shows the use of the TL1451 as a high-speed switching regulator
converting a 12-V Vce to 24-V and 5-V outputs.

3.6 TL1454AC dual PWM controller

3.6.1 Product description

The TL1454C incorporates on a single monolithic chip all the functions required in the
construction of two PWM control circuits. The device contains a 1.25 V reference, two
error amplifiers, an adjustable triangle-wave oscillator, two dead-time comparators,
undervoltage lockout, short-circuit protection and dual totem-pole output circuits. See
figure 3.29.

The output circuits can drive external power MOSFETs directly, output 1 for N-channel
MOSFETs and output 2 for P-channel MOSFETs. The output stages are totem-pole
outputs with a maximum source and sink current rating of 40 mA and a voltage range of
20 V. The output is controlled by a complementary output AND gate and is turned on
(sourcing current for output 1, sinking current for output 2) when all following conditions
are met: the oscillator triangle wave is higher than both the DTC voltage and the error
amplifier output voltage, the undervoltage lockout is inactive and the SCP circuit is
inactive.

3.34




Power Supply Solutions

Block Diagram of the PWM TL1454C

Voo AT CT
|10 2 1
16
VOLTAGE REF
AEF 1250V o 10 { e - 18V
INTERNAL
a0l — ] CIRCUITRY /\/\ .

T LR B B vV,
COMPY :_l L 050—1 WM e
4

3 14
scpP DTCt1  DTC2

Figure 3.29 - TL1454 Block Diagram

3.6.2 Key features

¢ Oscillation frequency ~ 50 kHz to 2 MHz
¢ Wide supply voltage range —3.6 Vto20V

¢ Low supply current — 3.5 mA typ.

¢ 16-pin dual-in-line or SO package

3.6.3 Applications

The TL1454C can be used for the same applications as TL1451AC and also for additional
applications where external MOSFET drivers are required. Another advantage may be
the high oscillation frequency which shows the improved efficiency of the regulator. But
care has to be taken regarding radiation effects on other parts of the circuit (short circuit
connections!).
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PWM Timing Diagram

PS Short-circuit —\

OUTPUT or V5 L
VOLTAGE

osc JAVAN AvavAVAVA VAVAYAY

come 1 ]I LU rrrresrrermi
ourt ] U rrrre s rre
oz [ T] IRV
TIMER r_

LATCH
Veo /S —27v {
0

Note A: The waveforms show normal PWM signals up to a short circuit ( shutdown occurs at to)

Figure 3.30 - PWM Timing Diagram

Figure 3.30 shows the waveforms of the normal PWM signals up to a short circuit (shut
down occurs at tq ).
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4. Supply Voltage Supervisors
(SVS) SCSl-terminators, Clamp
Circuits

4.1 Introduction

The function of a Supply Voltage Supervisor (SVS) is to monitor the supply voltage to a
system and to flag the microprocessor, through its enable/disable facility, if the supply
voltage goes out of its defined operating window. The supply voltage supervisor can also
be used to ensure that a digital system is powered up correctly by applying a reset to the
system until the supply has been established.

Supply Voltage Supervisors
. |

+ Ve T
+Voea
| DIGITAL ANALOGUE |
Psu SVSo SYSTEM SYSTEM
GND It I |
‘VCC| \

OPERATING
WINDOW

Figure 3.31 - Supply Voltage Supervisors

In an analogue system, variations in the supply can affect the performance of the signal
to noise ratio and the dynamic range of the system. However, in a digital system where
the supply voltage window is fixed at 5 V £5% to guarantee its operation, any power
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supply variation (under- or over-voltage) outside the specified window may cause

unpredictable failures.

A power supply fault can affect any of the digital bits from the MSB to the LSB.
Undervoltage is the most common condition, occurring each time the power supply is
turned on. The output voltage takes time to settle to its required value and therefore the
digital system would be powered up before the supply has settled within the specified

window.

When the supply voltage of a linear regulator falls below the drop-out point, the output of
the regulator generally tracks the input voltage, causing a negative spike to occur on the

ouput (undervoltage fault ).

Supply Voltage Supervisors

Veo | 1 i
o : Device Supply Tolerance
| i g TL7702A Prog.
RESET I i W i TL7705A 5V
: TL7709A oV
RESIN TL7712A 12v
RESIN 1%
S TL7715A 15V %
Time
Vee TL7702B Prog.
, TL77058 5V
1 8
o g 10ka TL7757 5V 69
RESIN o R 2 8 7 J TL7759 5V 26%
N o RESET
= RESET | 1177705 | 5V Prog.
== 4 5 —o RESET | TL7770-12 | 12V + Prog. 1%
0.14F Cr TL7770-15 | 15V + Prog.
10ka
T TLC7705 5V 1.5%

Figure 3.32 - SVS Family

3.38




Power Supply Solutions

Block diagram of a Power Supply

Regulator  |——-——

o/

Figure 3.33 - Power Supply Block Diagram

4.2 TLC77051 low power SVS

For applications where low power dissipation is a need, TI has developed the TLC77051.

This is a BICMOS version of a supply voltage supervision circuit and requires only a very
low supply current.
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Voltage Characteristic in the
Power Supply

U :
. a) Output Voltage of the
2 ; /\ Transformer (V)

b) Voltage Characteristic on
the Land-Capacitor (V)
atT = 0and0<t < T/2

c¢) Voltage Characteristic on
the Output of the
> V-Regulator (V,)
t O<t < T2

Figure 3.34 - AC/DC Supply Voltage Characteristic

4.2.1 - Performance of power supplies

We must consider the condition of the supply voltage when we layout the RESET circuit.
The switching performance of the AC/DC power supply in figure 3.33, depends on the
switching point of the sine wave at the input. Therefore the load capacitor can be charged
to different levels. The capacitor will be partly charged during the first half of the sine
wave. Then the output voltage will show a drop over the time, as shown in figure 3.34.
Therefore several periods of the AC voltage are necessary to stabilise the output voltage.
For AC/DC power supplies the settling time needs to be approximately 10 ms. The SVS
circuit must set the RESET- signal active until the power supply voltage is stabilised.

3.40



Power Supply Solutions

Voltage Characteristic of Battery
Powered Supply with interruption
of the mechanical switch

Switch
On w -

Oft

Vear ]

Figure 3.35 - Battery Supply Voltage Characteristic

Battery powered supplies have the advantage that the DC voltage level will be reached
immediately after connection. However, a delay time arises from the conjunction of the
blocking and filter capacitors and the internal resistance of the battery. For calculation
we can use:

Ri=0.1to 100hm and Cf=10pF to 1000uF

To reach 95% of the nominal supply voltage, following equation will be useful:
0.95Vce — t = —Ri. Cf.1n(0.05)

Therefore the rise time is between 0.03 and 30 ms.

Another factor is the interruption of a mechanical switch, which has also an impact on
the rise time, see figure 3.35. The RESET circuit must be designed to keep the
supervision circuit active until the supply voltage reaches its nominal value.
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Functional Block Diagram of TLC7705l
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Figure 3.36 - TLC77051 Block Diagram

4.2.2 TLC7705 Product description

To meet the need for low power supply voltage, TI has released the TLC77051. This is a
low power enhancement of the industry standard TL7705A using the LinBiCMOS™
process and supervises 5-V supplies. This micropower supply voltage supervisor is
designed for reset control in microprocessor systems. The functional block diagram is
shown in figure 3.36.

At power-on, RESET is asserted when Vdd reaches 1 V. After the minimum Vdd is
established, the circuit tests the SENSE voltage and keeps the reset outputs active as
long as the SENSE voltage remains below the threshold voltage. An internal timer delays
the return of the output to its inactive state to ensure proper system reset. The delay
time td is determined by an external capacitor:

td=21x10* x Ct

Ct in Farads, td in seconds.
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Timing Diagram of TLC77051

SENSE Voitage
1
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Vms I Ry 4
: 1
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RESET s — P
Output : :

Output __| /
Undefined

Figure 3.37 - TLC77051 Timing Diagram

When the SENSE voltage of the TLC77051 drops below the threshold voltage, the outputs
become active and stay in that state until the SENSE voltage rises above the threshold
voltage.
When CONTROL is tied to ground, RESET will act as active high. The supervision circuit
contains additional logic for control of static memories with battery backup during power
failure.

4.2.3 Design ideas

In order to achieve good system supervision we must understand the detailed
performance and the switch-on time of the supervised circuit.

The delay time td is a function of the stabilised supply voltage of the supervised system.
The system will be active when all parts of the circuit are functional.
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Reset Controlier in a Microcomputer

System
5V
100kq I—J: 0.1pF 0.1pF l
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—) }_7‘

GND
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Figure 3.38 - TLC7705 as a Reset Controller
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Data Retention During Power Using

Static CMOS RAMs
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Figure 3.39 - SRAM Data Retention During Power-down
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4.3 TL2218-285 SCSI terminator

The SCSI high-speed multi-point communication standard allows both single ended and
differential transmission. Here we are concerned only with the single ended interface.

Single ended SCSI employs a driver and receiver configuration using TTL logic levels as
shown in figure 3.40. It is primarily intended for applications within a cabinet, with the
maximum line length being limited to 6 metres, and with up to 6 devices connected to the
line.

Whereas EIA-232 had data rates of 20kbps, this single ended standard is intended for
data rates between 1 and 5 million transfers per second (equivalent to 10 to
40 Mbytes/sec). The importance of termination in high speed multi-point communications
is clearly demonstrated as innovative techniques are enabling the maximum transfer
rate to approach 10 Mtps (80 Mbps).

Single Ended SCSI Bus Signal Range

3V 2.85 V SCSI Open Circuit Voltage
2.5 V SCSI Min Voltage for De-asserted Signal
2V e 2.0 V Minimum Voltage for De-asserted Signal
1V 0.8 V Maximum Voltage for Asserted Signal
0.5 V SCSI Max Voltage for Asserted Signal
0 0.2 V Typical Driver asserted Voltage

Figure 3.40 - Single-ended SCSI Bus Signal Range

4.3.1 Single ended SCSI termination

Proper termination of a bi-directional bus such as SCSI requires terminators at each end
of the cable, with the terminator’s job being to source as much current as possible during
de-assertion. This is covered by the SCSI specification, which sets the limit for each
terminator to a maximum supply of 24 mA. This prevents the line current from exceeding
the 48 mA current sink limit of the open collector drivers.
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The role of the SCSI terminator is not confined to low-to-high signal transitions. Once a
signal has been de-asserted, the terminator is required to bias the bus lines to the correct
open circuit voltage level, to ensure maximum noise margins.

Now we take a look at the two best known methods of single ended SCSI termination.

4.3.2 Passive and active SCSI termination

SCSI termination has traditionally been carried out using passive termination networks.
As illustrated in figure 3.41, these consist of two resistors per signal line, one capacitor
and a Schottky diode. This type of termination typically results in a maximum line
current of approximately 17 mA. On a heavily loaded bus, the calculation gives a first
step value of 1.76 V — well short of the desired 2.0 V level. As a result the line voltage will
fluctuate with variations in the load current and TERMPWR. This leads to smaller noise
margins, lower line currents and reduced data rates.

A better solution is active termination using a voltage regulator in series with a 100 Ohm
resistor per line (figure 3.41). This method, known as active Boulay termination, was
developed to overcome the main shortcomings of passive termination. The 110 Ohm
resistor increases the typical line current available on de-assertion to 21 mA. This is
equivalent to a 35% increase in line impedance, from the transmission line viewpoint.
The line current and the high-level noise margins are also more stable since TERMPWR
is no longer used to set the bias voltage directly, which is now done by the voltage
regulator.

Passive and Active SCSI Termination

Passive Termination

Low and Unstable Line Currents.

Large Number of Discrete Components
High Quiescent Power Consumption
Highly TERMPWR Dependant.

TL-SCS1285

Active Termination

Improved Line Current Capability
Precision 2.85 V Bias Voitage
Very Low Quiescent Current
Current Source Only

Fewer Discrete Components

Figure 3.41 - Passive and Active SCSI Termination
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4.3.3 Current source termination using the TL2218-285

Further improvements beyond active termination are achieved by the use of a current
mode terminator. The TL2218-285 introduced by Texas Instruments is such a product.

The TL2218-285 current mode, or non-linear, device does not contain a voltage regulator.
This means that no filtering or stabilising capacitors are needed, unlike 'completely
integrated' active terminators. Another major difference between the TL2218-285 and
passive and active terminators is that the current available on de-assertion is
independent of the terminator voltage (figure 3.42).

TL2218-285 - Current Source
Termination

TL2218-285 Enables Single Ended Data Rates of 10 MHz

SCSi |-V CHARACTERISTICS

. TERMPWR
»” Rt B 4V =7
L J ["Passwe *
ENABLE TL2218 TL2218 |- ° Y IL
T o 3V \ | Tle218-285 T
Do D8 D9 D17 2 N
z s j
2 2v S A
— (2 of 18 lines shown ) 2 N
E Active |\’
ATV ASURRY S P R S N § S S
* 23 mA Applied at First High-Level Step Ne,
* Very Low Output Capacitance, Typically 6 pF N
¢ No External Components Required 0
¢ Compatible with Active Negation 105 0 5 10 15 20 25
® Thin Shrink Small Outiine Package ( TSSOP ) Terminator Current - mA

Figure 3.42 - Current Source Termination

During de-assertion the TL2218-285 operates as a 23.5 mA current source which is able
to maintain this current level until the signal reaches the correct SCSI open circuit
voltage. At this point the TL2218-285 becomes a voltage source of 2.85 V.

The additional current supplied by the device reduces the low-to-high transition time by
ensuring that each voltage step is consistently the largest possible. The effect can be seen
in Figure 3.43, which shows the signal waveforms obtained after using the TL2218-285 to
terminate a 50 Ohm cable. Even at 10 MHz the first step voltage still exceeds the desired
2.0 V level.

Another feature of the TL2218-285 is the inclusion of a disable function which allows the
terminator output to be shut down. This is particularly useful for a peripheral which
finds itself somewhere other than at the physical end of the bus.

If disabled, the circuit consumes just 500 pA of current, and maintains an output
capacitance of 6 pF. With the 15 pF typical output capacitance of a peripheral
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transceiver, this will give a total node capacitance well within the 25 pF SCSI limit. A
voltage terminator will normally maintain a disabled output capacitance of at least
10 pF, often leaving the system to operate outside the SCSI specification.

First High Level Step Comparisons

4 T T T T T 4 T T T T
Passive Termination Active Termination
3 — S 3 T
1MHz J) 1MHz
2 . 2 FE DY R R .
1 1 -
0 I‘ . 0 - = - - —— e
10]0ns/f1iv ‘ IOPns/fiiv
TERM
3 Metre, 5002 3 Metre, 50Q2
4 4 ,
5 MMy NCR53C7xx f 10 MHz
z = L
1 T TL2218-285 PO A
NEEYS |
ﬂ)f)ns/idiv @ 10P5ld\iv

Figure 3.43 - SCSI Step Comparisons

A potentially damaging situation arises when active negation drivers are being used.
These devices sense bus voltages and source sufficient additional current to ensure the
first step voltage reaches the minimum SCSI level. Despite this attractive feature their
relatively high cost has limited their use to ultra fast control lines such as ACK and REQ.

4.3.4 Power considerations

Although it increases the data rate, line termination will also increase the power
consumption of a SCSI system. With the increased use of SCSI in portable or battery
powered systems this is important.

During data on periods, the power dissipation on each of the SCSI termination methods
is very similar. For an 8-bit bus with all the data lines asserted, the power dissipation in
each case will be around 1 Watt.

During data off periods the position is significantly changed. The resistor dividers of a
passive terminator will still draw around 750 mW of power. Both the TL2218-285 and
active terminators, however, require a total quiescent current of less than 10 mA,
providing a 30% saving in power consumption.

For a single TL2218-285 it is possible to calculate a worst case dynamic power dissipation
of 493 mW. This assumes that all nine lines in the package are asserted simultaneously
and experience a 50% duty cycle.
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Battery powered systems also benefit from the extended TERMPWR range of the
TL2218-285. Compared with competing solutions, which require a minimum TERMPWR
of 4 Volts, the 3.5V to 5.5 V range of the TL2218-285 greatly increases the potential for
prolonged operation.

4.4 TL7726 Clamp Circuit

The TL7726 voltage limiter has been designed to protect sensitive linear components in
harsh industrial or automotive environments. One problem with most voltage clamps is
that they will clamp the sensitive device they are trying to protect only when the input
voltage has gone above the supply voltage by more than one diode voltage. The TL7726
was developed to overcome this problem. Normal protectors using bipolar or Schottky
diodes will clamp only to within 400mV of the supply. The TL7726 clamp circuit can
clamp within 200mV. The positive clamping voltage of the TL7726 is set by its reference
voltage, which is normally tied to the supply voltage of the device it protects.

Simplified Circuit of the
Voltage Limiter TL7726

T D Vet
Qt PJ * D Clamp

iC1

adl QaL ﬁm - as
A
r

o

Figure 3.44 - TL7726 Simplified Circuit

The precision hex voltage limiter TL7726 has clamping diodes on chip with extremely low
forward voltages. This circuit is shown in Figure3.44.

An internal reference voltage must be generated across the transistor Q1, connected as a
diode; this internal reference is one diode forward voltage drop below the external Vref.
The current through Q1, which is determined by the resistor Rl, is only a few
microamps. As a result, the supply rail of the circuit to be protected (usually connected to
Vref) will be only very slightly loaded, allowing this voltage limiter to be used with
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battery-powered equipment. The transistor Q2 generates a reference voltage, with a
circuit complementary to that of Q1, which limits voltages more negative than GND.

Current/Voltage Limits of TL7726

IlN

100mA
10mA
- 1TmA
100pA
- 10pA
N |~ TpA
V i -50mV
------------------- | DYt SRR L L ERL LR
: Vin
™ :
Viet V it 200mV

-200mV ov

Figure 3.45 - TL7726 Current/Voltage Limits

The voltage to be limited is connected to the clamp input. If now the voltage at this point
becomes more positive than the internal reference voltage at the emitter Q1, plus the
foreward voltage of the base-emitter diode of Q4, then a collector current will flow in Q4.
This current will come in part from base of Q3, whose collector current wili then further
increase the base current of Q4. This feedback ensures that the base current of Q5 and
also its collector current simultaneously increase rapidly. This circuit technique ensures
that a current of only -a few microamps flows in Vref, so long as the voltage at the clamp
input is the same as, or smaller than, the reference voltage Vref. A small increase of the
voltage at the clamp terminal causes the current to increase very rapidly, see figure 3.45.

Fast operation of the TL7726 has been achieved with the capacitor C1 in figure 3.44
which essentially consists of the collector-base (Miller) capacitance of Q5.

An application of the TL7726 is shown in Figure 3.46. For an input voltage between
ground and Vref, the clamping circuits present a very high impedance to GND, drawing
current of less than 10pA. When the clamping circuits are in the active state for
Vin<GND or Vin>Vref, they have a very low impedance and can sink up to 26mA. If the
circuit needs to be protected against high voltages, external series resistors Rv will be
needed. The resistor values can be chosen between tens of Ohms up to kOhms depending
on the external input voltage.

The new TL7726 precision hex voltage limiter now provides, in a single SO-package,
protection and reliable operation for up to six analogue channels.
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TL7726 Over-Voltage Protection Clamp
Precision Hex Voltage Limiter in 8-pin DIP and SOIC

o Clamps inputs to within 200 mV of Input Clamped to within

Supply Rails 200 mV from Rails
e > 25 mA Sink and Source Clamp 5V
Currents
o Low Input Leakage —_ 0
Current - 10 pA — h Al TLC1543
g, A2 11 input ADC
52
°g A3 (gof11
&= R A4 yPs shown)
— A5
P T
Iiamp =
Vin(max)= 52V+ lCIamp’ RV

Vin(max)"' 0.2V+ |Clamp’ Ry

Figure 3.46 - TL7726 Application

3.52




Power Drive Circuits

Section 4
Power Drive Circuits

Section Contributions by:

David Cotton Julie Holland Mick Maytum
Ben Mullett Charles Wray

Jean-Claude Baumer

“? TeEXAS
INSTRUMENTS

4.1



1995 Linear Design Seminar

4.2







